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Abstract

In this paper we consider the design of spectrally efficianetlimited pulses for ultra-wideband (UWB) systems
using an overlapping pulse position modulation schemettismwe investigate an orthogonalization method, which
was developed in 1950 by Léwdinl [1, 2]. Our objective is toadbta set ofN orthogonal (Lowdin) pulses, which
remain time-limited and spectrally efficient for UWB systerfrom a set o equidistant translates of a time-limited
optimal spectral designed UWB pulse. We derive an approba@io@wdin orthogonalization (ALO) by using circulant
approximations for the Gram matrix to obtain a practicagfiimplementatioras a tapped-delay-ling [7]. We show
that the centered ALO and Léwdin pulses converge pointvashé same square-root Nyquist pulseNagends to
infinity. The set of translates of the square-root Nyquids@fiorms an orthonormal basis for the shift-invariantegpa
generated by the initial spectral optimal pulse. The ALOhd¢farmation provides a closed-form approximation of
the Léwdin transformation, which can be implemented in aal@g fashion without the need of analog to digital
conversions. Furthermore, we investigate the interplayéen the optimization and the orthogonalization procedur
by using methods from the theory of shift-invariant-spa&ésally we relate our results to wavelet and frame theory.
Keywords: Lowdin Transformation, Shift-invariant spaces, PPM UWa&msmission, FIR filter design, canonical

tight frame

1. Introduction

We consider in this work high data rate transmission in tir@wideband (UWB) regime. To prevent disturbance
of existing systems, e.g. GPS and UMTS, the Federal Commatioits Commission (FCC) released [5] a very low
power spectral density (PSD) mask for ultra-wideband (UWBtems. To ensure that sufficiently high signal-to-
noise ratio (SNR) is maintained in the frequency b&né& [0, 14]GHz, as required by the FCC, the pulses have
to be designed for a high efficient frequency utilisation.isTitilisation can be expressed by the pulses normalized
effective signal power (NESP)|[6]. Several pulse shapinthiods for pulse amplitude and pulse position modulation

(PAM and PPM) were developed in the last decade based on arEfiRgring of a fixed basic pulse. Due to the high
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sampling rates in UWB this FIR filtering is realized by a tagpkelay line|[9]. A SNR optimization under the FCC
mask constraints then reduces to a FIR filter optimizatist9]6

Since the SNR is limited, the amount of signals can be inesachieve higher data rates or to enable multi-user
capabilities. For coherent and synchronized transmissien memoryless AWGN channels, an increased nuriNber
of mutually orthogonal UWB signals inside the same time, ddtoabwn asN-ary orthogonal signal design, improves
the BER performance ovét,/Ng and hence the achievable rate of the sysiern [10, Ch.4].

Combining spectral shaping and orthogonalization is aeriently difficult problem being neither linear nor con-
vex. Therefore most methods approach this probsemuentially, e.g. combining spectral optimization with a
GRAM-SCHMIDT construction([9, 11, 12]. This usually results in an unataele loss in the NESP value of the
pulses|[13, 14]. Moreover these orthogonal pulses arerdiffen shape and therefore not useful for PPM. Further-
more, a big challenge in UWB impulse radio (UWB-IR) implertadion are high rate sampling operations. Therefore,
an analog transmission scheme is desirable [14—-16] to évgidsampling rates in AD/DA conversion [15].

Usually, PPM is referred to an orthogonal (non-overlapppgse modulation scheme. To achieve higher data
rates in PPM, pulse overlapping was already investigatexptital communicatiorn [17] and called OPPM. An ap-
plication to UWB was studied for the binary case with a Gaarssnhonocycle/ [18]. To the authors’ knowledge,
no orthogonal overlapping PPM (OOPPM) signaling has be@sidered based on strictly time-limited pulses. In
this work we propose a new analog pulse shape design for URV®-lenable an almost OOPPM signaling which
approximate the OOPPM scheme up to a desired accuracy.

In our approach, we first design a time-limited spectralrojéd pulsep and perform afterwards a Léwdin
orthogonalization of the set of\2+1 integer translateﬁn(-—k)}lﬁi_M, which span the function spasé’(p). This
orthogonalization method provides an implementable aablstapproximatiorp>M to a normalizedsquare-root
Nyquist pulse p(all integer translates are mutually orthonormal) . UsimgRourier transformatiorfor p given by

p(v) = fR p(t)e 2 dt for everyv € R, the square-root Nyquist pulg® can be expressed in the frequency-domain
p()
v 2Pl - K)I?

for v almost everywhere, which is known as trthogonalization trici[1S].

p°(v) = 1)

Usually in digital signal processing, see Fi. 1, the tino@tnuous signals (pulses) irf are sampled by an analog
to digital (AD) operation (either in time or frequency) totalm time-discrete signals i62M+1. Then a discretization
of the orthogonalization i {1) yields a finite digital trémsmationDM to construct a discrete signal in the frequency
domain which has again to be transformed by a DA operatiorbtaio finally an approximation of the square-root
Nyquist pulsel[20].

Instead of using such an AD/DA conversion to operate in ardiecdomain (depictured in Figl 1 by the digital box),

we use thedemocratic Léwdin orthogonalizatiCHw BM (in the analog box), found by Per-Olov Léwdin in |1, 2],

2In fact, the Léwdin orthogonalization and the orthogoretlian trick are both orthonormalizations, but for histaticeasons we will refer them
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Figure 1: Analog and discrete approximation methods in time frequency domains

where all M + 1 linear independent pulse translates are involved simettasly by a linear combination to generate
a set of time-limited mutual orthonormal pulses. Hence thevdin orthogonalization is order independent. The
Lowdin pulses constitute then an orthonormal basis for e (p) of the initial basig p(- — k)}l’i_M. Moreover,

as we will show in our main Theorelm 2, the Léwdin orthogoratlan BM is a stable approximation method to the
construction in[{lL) and operates completely in the analagain. Note, that a discretization &fl (1) generates neither
shift-orthonormal pulses nor a set of mutual orthonormégal The important property of the Léwdin method is its
minimal summed energy distortion to the initial basis. hniout that all orthonormal pulses maintain the spectral
efficiency "quite well”.

As M tends to infinity the Lowdin orthogonalizatidh= B* applied to the initial puls@ delivers the square-root
Nyquist pulsep°®, which allows a real-time OOPPM system with only one singigahed filter at the receiver. Since
the Lowdin transfornBM is hard to compute and to control we introduce an approximétedin orthogonalization
(ALO) BM and investigate its stability and convergence propertigsirns out that for fixedVl the transformations
BM andBM are both implementable by a FIR filter bank (realised as ae@gelay line) like the spectral optimization
in [9]. We callBMp andBMp approximate square-root Nyquistilses, since we observed that even for filiteur
analog approximation yields time—limited pulses with adnshift—orthogonal character since the sample values of
the autocorrelation are below a measurable magnitude éocdlrelator. Hence such a construction of approximate
square-root Nyquist pulses seems to be promising for an ®O#Btem.

The structure of this paper is as follows: In Secfidbn 2 weoidtice the signal model and motivate our spectrally
efficientN-ary orthogonal overlapping PPM design for UWB systemstiSe@ presents the state of the art in FCC
optimal pulse shaping for UWB-IR based on PPM or PAM transioisby FIR prefiltering of Gaussian monocycles
which is a necessary prerequisite for our design. To dev@lw@pproximation and convergence results in Seéfion 4
we introduce the theory of shift—invariant spaces in Sedid and in Sectioh 4.2 the Léwdin orthogonalization for
a set ofN translates to provide W-ary orthogonal overlapping transmission. Our main resugiven in Sectioi 413,

where we consider the stability of the Léwdin orthogonadl@aBM (for M increasing to infinity) and develop for

as orthogonalization methods.



this a simplified approximation methd#!, called ALO. In Sectionl5 we study certain properties of olerfidesign
and investigate the combination of both approaches. Funihe, in Sectiof 5]1 we develop a connection between
our result and the canonical tight frame construction. Iina Section6, we demonstrate that the ALO and Léwdin
transforms yields for sufficiently large filter orders corha supported approximate square-root Nyquist pulses,
which can be used for OOPPM having high spectral efficiencthenFCC region. Moreover, the Léwdin pulses

provides also a spectrally efficient2+ 1)-ary orthogonal pulse shape modulation (PSM) [21].

2. Signal Model

In this work we will consider finite energy pulsgs i.e. the set.? := {p ‘R->C | Ipll 2 < oo} of square-

integrable functions with nori|, - := (-, -) induced by the inner produict
(.0 = [ pjatet @)

To control signal power in time or frequency locally we neetsps inL* := {p ‘R->C | [1plle < oo} which are

essentially bounded, i.e. functions with a finit8-norm, given as

lIplle, = ess suglp()l}, 3)
teR

where theessential supremuis defined as the smallest upper bound|fift)| except on a set of measure zero. If the
pulse is continuous than this implies boundedness evempvb®VB-IR technology uses ultra short pulses, i.e. syrictl
time-limited pulses with support contained in a finite intX c R. We call sucH_2- functionscompactly supported
in X and denote its closed span by the subsg¢X). The coding of an information sequen@} = {dylnez iS
realized by pulse modulation techniques [12, 22] of a fixedmadized basic pulsp € L?([0, Tp]) with durationT,.

A relevant issue in the UWB-IR framework and in our paper &sspectral shape of the pulse. In this section we
will therefore summarize the derivation of spectral deesifor common UWB modulation schemes such as PAM
[@], PPM [6,123+-26] and combinations of both [27] to justifurospectral shaping in the next section. Antipodal
PAM andN-ary PPM are linear modulation schemes which map each dathdyl, to a pulse (symboly, (t) with
the same power spectruiip(v)%. If we fix the energy& of the transmitted symbols and the pulse repetition time
(symbol duration)Ts, we will show now for certain discrete random processes .( eigl. processes [3]) that the
power spectrum density (PSD) of the transmitted signals/endoy

8|f>(v)|2.

Su(v) = T,

(4)

Hence an optimization of the pulse power spectrum to the F@§k: (v) over the bandF in Sectiori B increases the

transmit power. To be more precise, PPM produces discreigrsp lines, induced by the periodic pulse repetition,

3The bar denotes the closure for sets and the complex coitjudat vectors or functions.
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the use of uniformly distributed pseudo-random time hoggifH) codesc, € [0, Nc] was suggested to reduce this

effect and to enable multi-user capabilities [23-+25/ 23, 29

u)= > VEp(t-nTr - caTe = diynyT)- (5)

n=—oo
In [2€] this is called framed TH by a random sequence, sineectiding is repeated in each frae times with

a clock rate of 1T;. HenceN¢T; = Ts is the symbol duration for transmitting one out lfsymbol waveforms
representing the encoded information symtipkE {0,...,N — 1}. To prevent ISI and collision with other users, the
maximal PPM shiftT and TH shiftT. have to fulfill NT < T, andN:T. < T¢. To ensure mutual orthogonality
of all symbols one require§ > T,. The PSD for independent discrete i.i.d. procegsgs{d,} follows from the

Wiener-Khintchine Theorem [28, 30] tol[6, (5)], 127, 31].

5.0y = SO |1 )|2+|Gﬁ(v)|226( k) o
v) = ——— |1-|Gs(v v——
! Ty s Te 4 Ty
. 1 Isin(avTcNe) [ |sinGvT N) : . o
with [Gs(v)| = NN ’ St Ty || sinom) ands is the Dirac distribution (7)

However, a more effective and simple reduction method withbe use of frame repetitiolN¢ = 1) or random
TH (N; = 1) has been proposed in_[27, 31]. Here antipodal PAM \ajtte {-1, 1} is combined withN-ary PPM

modulation, folNT < Ts
u(t) = V& > anp(t - nTs - daT). (®)
n
The PSD for such i.i.d. processes is well known [22, Sec.4.3]

-i2mvdT][?
Su(v) = %(:NZ[E [az] _ |E[a] _E[e—iZm/dT”Z . |IE [a] ]E-I[—(: 2 dT” 25(V ) %)] | o

since we havésg(v) = ]E[a]]E[eiz’”dT] in (). For an i.i.d. proces&n} with expectatiorE[a] = 0 and variance
E [az] = 1 the PSD reduces tbl(4). Hence the effective radiation paessentially determined by the pulse shape

times the energ§ per symbol duratioffs and should be bounded pointwise Bribelow the FCC maskr

&M=d%ﬁg&w forall veF. (10)

The optimal receiver foN-ary orthogonal PPM in a memoryless AWGN channel with nois&er densityNy is the

coherent correlation receiver. The uncoded bit Rtand average symbol error probabilRy is given as|[10, 4.1.4]

Ry = IO_I_LSN and Pg(&) < (N-1) erfc[ \/NEO] (11)

where erfc is the complementary error function. Hence, fopmiance gain for fixed's is achieved by increasing
and/or&.



Increasing N. Usually non—overlapping pulses are necessary in PPM toagtee orthogonality of the sép(- —

nT)} := {p(- — NT)}nez Of pulse translates, i.eT > T,. For fixedT, this limits the number of pulsel in [0, T]

and hence the rat&,. In this work we will design an orthogonal overlapping PPMJBRPM) system by keeping
all overlapping translates mutually orthogonal. But sughage-root Nyquist pulses are in general not time—limited,
i.e. not compactly supported. In fact, we will show that foparticular class of compactly supported pulses a
non-overlapping of the translates is necessary to obtdit shift-orthogonality. However, we derive overlapping
compactly supported pulses approximating the squareMgqtist pulse in[(ll) and characterize the convergence.
These approximations to the square-root Nyquist pulsevalcealizableN-ary OPPM implementation based on FIR

filtering of time—limited analog pulses.

Increasing&. The maximization o€ with respect to the FCC mask was already studied!in/[6, 7] e/AeFIR pre-
filtering is used to shape the pulse such that its radiatecepepectrum efficiently exploits and strictly respect the
FCC mask. Note that the FCC regulation[inl(10) is a local sairgtand does not force a strict band-limited design,

however fast frequency decay outside the inteFvéd desirable for a hardware realization.

Our combined approach now relies on the construction of eéiltering operations to shape a fixed initial pulse.
The first filter shapes the pulse to optimally exploit the FC&knand the second filter generates an approximation to
the square-root Nyquist pulse. The filter operations candseribed asemi—discrete convolutiord pulsesp € L?
with sequences € £2 := {a | [|all%, = X, lan* < oo}

p*7Ci= Z Cap(- — nT), (12)

nezZ

at clock rate 1T. If we restrict ourselves to FIR filters of orderthe impulse response becomes a sequercé (L)

which can be regarded as a vector€in Hence we refer foc € C' to FIR filters and forc € £2 to IR filters.

3. FCC Optimization of a Single Pulse

The first prefilter operation generates an optimized FCCepplsTo generate a time-limited real-valued pulse
we consider a real-valued initial input pulges L?([-Tq/2, Tq/2]) and a real-valued (causal) FIR filtgre R-. A
common UWB pulse is the truncated Gaussian monoay{|7,/32], see also Sectigh 6. The prefilter operation is

then:

L-1

p(Y) = (a %7, (1) = ) et - kTo) (13)

k=0
which results in a maximal duration (support lengtig)= (L — 1)To + Tq of p.
To maximize the PSD according {0 {10) we have to shape thalipitlse by the filteig to exploit efficiently the

FCC maskS: in the passbanéf, c F, i.e. to maximize the ratio of the pulse powerf and the maximal power
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allowed by the FCC

o= [ 1By [ s (14

This is known as the direct maximization of the NESP vaj(®, seel[9]. Here we already included the constéhts
andTs in the basic pulse. If we fix the initial pulseq, the clock rate 1Ty and the filter ordet., we get the following
optimization problem
maxi (q =]
geRL T] (q To g) (15)
s.t.¥veF g0 - 160)F < S (),

whereg denotes the /Ty periodic Fourier series af, which is defined for an arbitrary sequertwe (2 as

&(v) = i Ccne 2o, (16)

N=—o00

Sinceg € £2(L) the sum in[(1B6) becomes finite fgr Liu and Wan [33] studied the non-convex optimization pewbl

(@3) with non-linear constraints numerically with fminganMATLAB program. The disadvantage of this approach

lies in the trap of a local optimum, which can only be overcdoman intelligent choice of the start parameters.
Alternatively [I5) can be reformulated in a convex form bingshe Fourier series of the autocorrelatigq :=

2k O«Ok-n Of the filterg [34]. Sincergy, = rg_n (real-valued symmetric sequence) we write
L-1
Po(v) = > rndn() = 19()P (17)
n=0

on the frequency band—[g%o, 2—%0] by using the basig := {1,2cos(2vTo), 2 cos(2v2To),...} and get|p()? =

1

fo(v) - 16(»)|?. Due to the symmetry af, andS: we can restrict the constraints [n{15)Fo= [0, 2_T0] and obtain the

following semi—infinite linear problem:

L-1 . 1
rr:;%xnzg) rgnCh Suchthat < fy(v) < M(v) forall Ve[o’z_To} (18)
with  M(v) = ?F(v)z and cn:=f 16(v)1? dn(v)dv. (29)
|Q(V)| Fp

Since the FCC mask is piecewise constant, we sepAigiinto five sectionsM;(v) [35] and get the inequalities
Vi=1,...,5: fg(v) < Mi(v) for vela,pi] (20)

with 81 = 1.61, 8, = 1.99,83 = 3.1,84 = 106,85 = 14 anda; = a = a3 = a4 = 0, a5 = B4 in GHz, see Fid.12.

The necessary lower bound figy reads

Pg() =0 for ve[o,i}z[O,M]GHz (21)
2To



To formulate the constraints il ({19) fog as a positive bounded coneltt we approximate\;(v) by trigonometric
ponnomiaIE [i(v) == ¥ indn(v) of orderL in the L>-norm [35]. The semi-infinite linear constraints [n]20) ciéise

a compact convex set [34, (40),(41)]. To see this, let usihtce the following lower bound cones #E [0, 2—%0]

Kiow(6) = {rg eR"

L-1 1
Fgndn(v) > 0,v e [9, —}} (22)
; g 2To

For 6 = 0 the positive coné&y = Koy (0) defines the lower bound il (R1) if we sB§ = To formulate the

1
28GHz’
non-constant upper bounds, one can use the approximatiatidasI’(v) [35] given in the same basisas|g(v)°.

For each € {1,...,5} the bounds in(20) are then equivalent to

L
D (in—Tgn)gn() 20 for v e [aifl. (23)
n=1

For the upper bounds, we just have toggt:= yin — rgn for eachi = 1,...,5 andn > 1, which leads to the upper
bound cones

L-1

1
lt) = {1 < B 3, ot 2 0.0 6 o | (24)
. L-1
K@) = {rg € B{ " i) 2 0.v € [0.01 |. (25)
n=0
The five upper bound conés are then
Vi=1,...,4: K :=KgpB) and Ks:=Ky(as). (26)

Since the autocorrelation has to fulfill all these constmiit has to be an element of the intersection. After this

approximatioH we get from[(I5) the problem

max Z FgnCn- (27)

This is now a convex optimization problem of a linear functibover a convex set. By thpositive real lemmég34],
these cone constraints can be equivalently described biymesitive-definite matrix equalities, s.t. the probldn)2
is numerically solvable with theATLAB toolbox SeDuMil[[8, 36]. The filter is obtained by a spectratfaization of
rg. Obviouslyg is not uniquely determined.

Note that this optimization problem can also be seen as thxammation of a local.2-norm, given as the NESP value,

under the constraints of lochf°-norms.

4 Since the FCC mask divided by the Gaussian power spectruronistone increasing from 0 to BGHz we can lefy, . . ., I'4 overlap.
5 TheT; are approximations to the FCC mask with a certain error. Algas now fixed via the frequency randie If one wants to reduc®o,

one has to reformulate the cones, hepcand extend the frequency band constraints. Increagirapove 128GHz is not possible, if one wants

to respect the whole mask.
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Figure 2: Fourier—approximatiori@{- of Mfor L = 25.

4. Orthogonalization of Pulse Translates

In [7, [14] a sequential pulse optimization was introducedjcl produces mutually orthogonal pulsgg =
d 7, Om, i.e.(p2, Poy = onm. Here each pulsps, is generated by a different FIR filtgr, € R-, which depends on the
previously generated pulsgs, . . ., p,_, and produces pulses if([-Tq/2, (L-1)To+Tq/2]). This approach is similar
to the Gram-Schmidt construction in that it is order-degangsince the first pulsg] can be optimally designed to
the FCC mask without an orthogonalization constraint. VW mdw present a new order—independent method to
generate from a fixed initial pulgea set of orthogonal pulségy,}. Therefore we introduce a new time—sHift- 0,
namely the PPM shift if{5), to generate a selNof 2M + 1 translategp(- - mT)}M . i.e. M shifts in each time
direction. The orthogonal pulses are then obtained by lioembinations of the translates of the initial pufse~or a
stable embedding of the finite construction we restrictlitéal pulses to the sdl%p := L([-Tp/2, Tp/2]) of centered
pulses with finite duratiofp. To study the convergence we need to introduce the concepgafar shift-invariant

spaces.

4.1. Shift-Invariant Spaces and Riesz-Bases

To simplify notation we scale the time axis so thiat 1. Let us now consider the s8¢(p) := spanip(-—n)} of all
finite linear combinations ofp(- — n)}, which is certainly a subset &f. Thel2-closure 0fSy(p) is ashift—invariant
closed subspac8(p) := So(p) C L2, i.e. for eachf € S(p) also{f(-—n)} c S(p). SinceS(p) is generated by a single
function p we call it aprincipal shift-invariant(PSI) space and thegeneratorfor S(p). In fact,S(p) is the smallest
PSI closed subspace bf generated by. Of course not every closed PSI space is of this form [37]hisiwork we

are interested in spaces which are closed under semi-tlisorvolutions{12) witlf?> sequences, i.e. the space
V(p):={p+c| ce (28)

9



endowed with thé.?>- norm. Note thaW(p) is in general not a subspace or even a closed subspaéd3i,|38]. But
to guarantee stability of our filter desiyf(p) has to be closed, i.e. has to be a Hilbert subspace. Moré&sphgahe

translates op have to form eRiesz basis

Definition 1. Let H be a Hilbert space.{e,} c H is a Riesz basis fosparie,} if and only if there are constants

O0<A<B<,s.t.

2
Alldly <

2
<Blc|z forall ce (29)
H

> cen
n

In this casespane,} becomes a Hilbert-subspace#t For Sl spaces ih? = H we get the following resuilt.

Proposition 1 (Prop.1in|[39]) Let pe L?(R).

Then \(p) is a closed shift-invariant subspace d&fit.and only if

Alldi% <|lp+ ¢, <BliclZ  forall ce e (30)

holds for fixed constan$< A < B < o0. Moreover,{p(- — n)} is a Riesz-basis for {{¢)).

If the generatop fulfills (BQ), thenV(p) = S(p) by [40] and we callp a stable generatoandV(p) a regular
PSI spacg37]. An orthonormal generatofsquare-root Nyquist pulse, shift-orthonormal pylge for V(p) is a
generator with p°(- — n), p°(- — m)) = émn for all n,me Z [11? ]. Benedetto and Li[41] showed that the stability and
orthogonality of a generatqre L2 can be described by the absolutglpintegrable periodic functio®,, € L1([0, 1])

of p defined forv almost everywhere (a.e.) as
Dp(v) = Y 1p(v + K. (31)
k
They could show the following characterization/[41, 42].

Theorem 1(Th. 7.2.3in[42]) A function pe L? is a stable generator for {f) if and only if there exist® < A <

B < oo such that
A<d,(v)<B forvae. (32)
and is an orthonormal generator for(¥) if and only if
Dp(v) =1 forva.e.. (33)

Proof. For a proof see Th. 7.2.3. (ii) and (iii) in[42]. In our spdaiase we hav8 = 1. Note, that the Riesz sequence

and orthonormal sequence are bases for their closed spanjmgeghat in our cas8(p) = V(p). O

Due to this characterization in frequency there is a simphthbgonalization trick” for a stable generator given
in (@), which was found by Meyer, Mallat, Daubechies and tH43],[42, Prop. 7.3.9]. Unfortunately, this does
10



not provide an “a priori” construction in the time domain ashaes not lead to a support control of the orthonormal
generator in time, as necessary for UWB-IR.

Contrary to an approximation in the frequency-domain weragagh an approximation in time-domain via the
Léwdin transformation. We will show that in the limit the Ldlim transformation for shift—sequences is in fact
given in frequency by the orthogonalization tri€k (1). Byngsfinite section methods we establish an approximation
method in terms of the discrete Fourier transform (DFT) kovabin easy computation. Furthermore, we show that the
Lowdin construction for stable generators is unique anéhwgdtin theL2-distance among all orthonormal generators

and corresponds to the canonical construction of so cafiatiframes (given later).

4.2. Loéwdin Orthogonalization for Finite Dimensions

Since the Léwdin transformation is originally defined forrité set of linearly independent elements in a Hilbert
spaceH, we will use thefinite section methot derive a stable approximation to the infinite case. Fenthd consider
for anyM € N the symmetric orthogonal projectidiy from ¢2 to ¢, = {c € ¢?|suppcc {-M,..., M}} defined for
ce?byPyc:=c" =(0,...,0,c_m,...,Cm,0,...,0). Then the finite sectioGy, of the infinite dimensional Gram

matrix G of p € L2, given by
[Glam = (p(- —m), p(- —n)) for nmeZ, (34)

can be defined a6y := PyGRy, see [44, Prop. 5.1.5]. Ip satisfies[(20) and if we restrict the semi-discrete
convolutionp #’ ¢ to ¢2,, we obtain a & + 1 dimensional Hilbert subspasé&’(p) of V(p) = H. Then the unique
linear operatiorB™, which generates frorfp(- — m)}™._, anorthonormal basigONB) {pi*}M__,, for VM(p) and

simultaneously minimizes

M
> |1BMp( = m) - p(- - m)|[5, (35)
m=—M

is given by the (symmetric) Lowdin transformation|[, 2, '45] and can be represented in matrix form as

M
peM = BMp(- —m) = Z (G, lmp(- —n) forall me{-M,..., M}, (36)
n=-M

where we call eacp;;™ aLowdin orthogonal (LO) pulser Léwdin pulse

Here G;,,% denotes the (canonical) inverse square-root (restricte@,} of Gy. Note thatG;,,% is not equal to
PuG~2Ry. Since the sum if(36) is finite, the definition of the Lowdirlgms is also pointwise well-defined. In the
next section, we will see that this is a priori not true for thénite case. If we identify the correspondingth row
of the inverse square-root @&y with vectorsoM = ([GK,I%]m,M, ces [GK/I%]”HM) we can describé (36) by a FIR filter

bank as

ppM=p«bM . me{-M,...,M}. (37)



Unfortunately, none of these Lowdin pulses is a shift-ontbronal pulse, which would be necessary for an OOPPM
transmission. In the next section we will thus show that tbevdlin orthogonalization converges fidt to infinity to
an lIR filter b given as the centered row 6F 2. This IR filter generates then a shift-orthonormal pulsanely the
square-root Nyquist pulse defined [ (1). Hence the Léwdihagonalization{36) provides an approximation to our

OOPPM design. In the following we will investigate its stélgj i.e. its convergence property.

4.3. Stability and Approximation

In this section we investigate the limit of the Léwdin ortlomglization in [[36) for translates (time-shifts) of the
optimized pulsep with time durationT, < co where we further assume thais a bounded stable generator. If we set

K := [ Tp] then certainlyp € LZ. In this case the auto—correlationof

rp(t) = (p*P)() = fR p(7)p(r - t)dr, (38)

with the time reversap_(t) := p(-t) is a compactly supported bounded function e#K[K]. Due to the Poisson

summation formula we can represénfalmost everywhere by the Fourier seried (1) € 1) of the sample§r,(n)}

00

K
@p() = ) Tp(me ™™ = ) [Gluoe >, (39)
n=-K

h=—oo
which is the symbol of the Toeplitz matr®, since we have froni_(34) and (38) thig{n — m) = [G],m. Moreover the
symbol is continuous since the sum is finite due to the conmgastofr ,.

On the other hand the initial pulgeis a Wiener functioh [44, Def. 6.1.1] so thatb,, defines a continuous
function and conditior[{32) holds pointwise [47, Prop.lihc®@ both sides il (39) are identical a.e. they are identical
everywhere by continuity (see also[44, p.105]). Thus, lecsum ofG is continuous, strictly positive and bounded
by the Riesz bounds. Hence the inverse square-rodgsaridGy exists s.t. for anyM € N (by Cauchy’s interlace

theorem,|[48, Th. 9.19])
1 41
Aly <Gw <Bly and ElM < GM < K].M, (40)

wherely denotes the identity off,. Now we can approximate the Gram matrix byR3\NG'’s circulant precon-
ditioner [49], s.t. the diagonalization is given by a diser&ourier transform (DFT)_[50]. To get a continuous
formulation of the approximated Lowdin pulses we use th& Zransform[[51], given for a continuous functidras
(Zf)(ty) = ) ft-ne™™ for tyeR. (41)
nezZ

Our main result is the following theorem.

6 Wiener functions are locally bounded lif® and globally in¢*.
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Theorem 2. Let K € Nand pe L be a continuous stable generator fo¢fyy. Then we can approximate the limit set

of the Lowdin pulsefp;,} by a sequence of finite function sﬁﬁ%;'\"}r"n"}M, which are approximate Léwdin orthogonal

(ALO). The functiong;¥ are given pointwise for M= K and me {—M, ..., M} by the Zak transform as

—2riml
M7 (Zp)(t )

Sy 2wt <MK
e (O AL Vo 2 (42)
0 else
such that for eachma Z
Pm(®) = lim_ P () (43)

converges pointwise on compact sets. The limf@#) can be stated as
_1
B() = p0) - (@p(v)) ° (44)
for v € R in the frequency-domain. Hence the Lowdin genergtor= j is an orthonormal generator for {).

Proof. The proof consists of two parts. In the first part we derive taaightforward finite construction in the time
domain to obtain time-limited pulsek_{42) being approxiora to the Lowdin pulses. Using Strang’s circulant
preconditioner the ALO pulses can be easily derived in tesfiBFTs. In the second part we will then show that
this finite construction is indeed a stable approximatioth® square-root Nyquist pulse. Here we need pointwise
convergence, i.e. convergencefih (the set of bounded sequences). Finally, to establish fifteasthogonality we
use properties of the Zak transform.

Since the inverse square-root oNax N Toeplitz matrix is hard to compute, we approximate for &y K the
Gram matrixGy by using Strang’s circulant precondition®g, [49,!52]. Moreover, the Gram matrix is hermitian

and banded such that we can define the elements of the firstyr{&&(4.19)] as

rp(n) nef{0,...,K}
[Gmlon :==42rp(N-1) ne{N-K,....N—1} (45)
0 else

Here we abbreviathl := 2M + 1. The crucial property of Strang’s preconditioiy; is the fact that the eigenvalues
A(Gwn) are sample values of the symbbj, in (31)). This special property is in general not valid foratleirculant

preconditioners [52]. To see this, we derive the eigenahye53, Theorem 7] as
. K " N-1 N
=46y = er(n)e’z’””ﬁ + Z rp(N—n)e s for 1e{0,...,2M} (46)
n=0 n=N-K
by inserting the first row o6y given in [@5). If we set in the second suth= n — N we get from[[3D)
M & I
M _ ~omil b _
= n;Krp(n)e N = cpp(ZM " 1). (47)

13



Sincep is compactly supported the symbb}, is continuous and the second equality(inl (47) holds poirtwidore-
over, the Riesz bounds(32) pfguarantee thaby, is strictly positive and invertible for anyl. Now we are able to

define the ALO pulses in matrix notation by sethg pM(t) := {pt-n)M _,, = (p(t+M),..., p(t-M))T for anyt € R
poM() := G2 pM (1) = FuDy Fup™ (), (48)
since the circulant matri&y = FyDy Fy can be written by the unitafy x N DFT matrixFy, with

[(Fumlnm = %ez’ﬂ% with  n,me{0,...,2M} (49)

and the diagonal matri®y of the eigenvalues d&y;.

Let us start in[(48) from the right by applying the IDFT matf,, then we get for ankth component with
ke({0,...,2M}

M 2M
[FupM )]k = L (Ze%-%k.p(t+|\/|—n)+ Z ezﬂi'%k.p(tJrM—n)) (50)
N n=0 n=M+1
L i Tk p(t - ) (51)
-~ p(t - ))-

~_1 ~ ~
Next we multiply with the component®|,2]x = 6k/ A,M of the inverse square-root of the diagonal maljx

B Er oMt Okl 2riliMic o 1| e pit- ) 52
|55/ Fiap™)] = V_Zk Nl ,—ZM—\/;TA . (52)
- |

In the last step we evaluate the DFThat {0,...,2M}

M —2mm N

_ ek
0 =10 Ol = ) © )

d 2M M
Z ot - e = L 3 e 2j=_u bt e

N NS J@rp)o.4)

where we used the Zak transforim41)rgfto express the eigenvalué,’é". In the next step we extend the DFT sum

of the numerator iN{33) to an infinite sum. This is possibiesip(- — k) always has the same support lengtfior
eachk € Z. Thus, for alljt| > M — % the non-zero sample values are shifted in the kefgafhencep™(t) = 0. On
the other hand folt| < M - % any shift|j| > M results inp(t — j) = 0. If we also set for eacM the indexk := m— M

in (53) then the continuous ALO pulses can be written as

k @Zp)(t.3) K
Z 2m| N |t| <M=K
o M(t) - V@ro)0.%) 2 . (54)
0 else

7By slight abuse of our notation we understand in this sectipnmatrix as amN x N matrix andp™ (t), p>-M(t) asN-dim. vectors for any € R.
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i ; iy aM oM _ BM Zpty) i i
This defines for eack the operatiorB," by §," = B"p. For eacht € R the term N ks continuous function

in v since the Zak transforms are finite sums of continuous fanstand the nominator vanishes nowhere. This is

guaranteed by the positivity and continuity®f due to [40). Hence the ALO pulses are continuous as well.
The second part of the proof shows the convergence of oue fagihstruction to a square-root Nyquist pulse.

Therefore we use thiinite section methofbr the Gram matrix. Gray showed |53, Lemma 7] that
HGM - GM”W -0 (55)

asM — oo in the weak normiA|j2 := 1/N 2 /lJ?(A) implying weak convergence of the operators. SiBggis strictly

Unfortunately this does not provides a strong convergembigh is necessary to state convergencéin

positive for eactM € N we get by|[54]

~1 _1
&2 -Gy| —o. (56)

w

~_1
2

& 2Puc— G 2c foranyce (2. (57)

However, from [55]finite strong convergencean be ensured, i.e. convergence[ofl (57) forca# ¢2, for each
M’ e N. But for anyt € R there exists atM’ sufficiently large, due to the compact support propertypo$uch
thatc = p(t) := {p(t — n)} € €%,. This is in fact sufficient, since it implies pointwise conyence iny;, of (57), i.e.
component-wise convergence for eaehR. Let us take for eache R the numbeM’ € N such that mat|, K} < M’.

Then we can define the limit of theh component as

Bi(®) = lim B (o). (58)

If we defineAv = == andy| = |Av we can write for[(EB) by inserting (54)

2M - 2riky,
b - g § S
Using the quasi-periodicity [51, (2.18),(2.19)] of the Za#&nsform fork € Z we have for any, v € R
(Zp(- - K)(tY) = @Zp)(t -k v) = eZXZP)(E, V). (60)
We can express the partial sum on the right hand side_of (38kifimit as a Riemann integral for eath R
0 = im gy = [ (ERRIE, (61)

V(Zrp)(0.)
This shows thaélﬁ"p converge pointwise foM — co to Byp = Bop(- — k) = Py for eachk. The sequencgd} is
then generated by shifts of the centered ppise="; since the shift operation commutes with= Bo. This in turn

commutes with the Zak transformation, i.e. fortadl R we have

5 (Zp)(t—K,v) (Zp(-—K)(t,v)
Bk = [ LRV 4 (LRI Y), 62
(BR-K f,/(Zr,,)(o,v) Y Sz (62)
= (Bp(--K)(®). (63)
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From [G1) it is now easy to show thpt i5 an orthonormal generator. We write the left hand sid€ @f {6 the Zak
domain, by applying the Zak transforma p°

<o (Zp)(t.»)
Zp)ty) = ———==- (64)
V(Zrp)(©0,v)
If we multiple (64) by the exponential and integrate overtthee we yield for every € R
1 ) 1 —vat Zp)(t V)
e 2 (ZF°)(t, v)dt = e 2Pty g 65
[ ememe - [ 7o (65)

Since®, = (Zrp)(0,-) is time-independent we get the “orthogonalization tri¢K) by using in [(65) the inversion
formula [51, (2.30)] of the Zak transform

B() =p0) - (0p1) = B 0. (66)

Again, this is also defined pointwise since the right hand gdcontinuous itv. It can now be easily verified thaf ~

fulfills the shift-orthonormal conditioi (33), which showst 5° is an orthonormal generator foi(p). O

Remark Note, that relation {80) induces a time-shift. To applgtiu the ALO pulses if(34) the time domain has to
be restricted further. Hence the ALO pulses do not have ¢i#t character for finiteM € N, but locally, i.e. pﬁ”‘"
shifted back to the center matchgts*fort € [-M + & + k|, M - § — |K]]:

i - an_ w Pt + k — n)e2inn M p(t+ k- n)eZine-
¥ o

NZ =i P )T (68)

N

Sincep(t+ M + |k)) = 0 andp(t— M —|k|) = 0 for |kl < M and|t| < M — % — k|, we end up with

At +k) =

(67)

Z Zn_ M p\(/t/l;n)ez”' "
|

For all|k] < M the ALO pulses have the same shape in the winfillogM — % — |k| if we shift them back to the origin.

oMt + k) = = M 0). (69)

Moreover, the ALO pulses are all continuous on the real kirgce they are a finite sum of continuous functions
by definition [48). Hence each ALO pulse goes continuouskeim at the support boundaries. So far it is not clear
wheneverp® is continuous or not. Nevertheless its spectrpiis continuous and so we can statfe = p° almost

everywhere. Hence the orthogonalization trick defines ¢fuae-root Nyquist pulsp® only in anL? sense.

8A similar result is also known in the context of Gabor franse also [44, 8.3].
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5. Discussion of the Analysis

In this section we will discuss now the properties of our O®Pdesign for UWB, i.e. the optimization and
orthogonalization, which can be completely described byiRrfiltering process. First we will relate the Léwdin
orthogonalization to the canonical tight frame constarttiAfterwards we will show in Sectidn 5.2 that the Léwdin
transform yields the orthogonal generator with the miniirfatlifference to the initial optimized pulse. This is the
same optimality property as for canonical tight frames [t such an energy optimality does not guarantee FCC
compliance. So we will discuss in Section]5.3 the influenca pérfect orthogonalization to the FCC optimization.

Finally, we will discuss the implementation of a perfechagonalization by FIR filtering.

5.1. Relation Between Tight Frames and ONBs

Any Riesz basi$py} for a Hilbert spaceH is also aexact framdor H with the frame operatd® defined by

SiH - H, fSf=(fpo,po (70)
k

where the frame bounds are given by the Riesz bourds @ B< o of {pi} [42, Th. 5.4.1,6.1.1],i.e.
AlfIZ <(St ), <BIf|2 forany feH. (71)

Here(:, -),, denotes the inner product i and||-|lz the induced norm. Sinc8 is bounded and invertible, i.e. the

inverse operator exists and is bounded [42], we can writh éacH as
=SS = (S, po, P (72)
k

In this case the Léwdin orthonormalization correspondéiéctinonical tight frame construction

Lemma 1. Let the sequencgy} be a Riesz basis for the Hilbert spagé:= sparipk} andG its Gram matrix. Then

the canonical tight framgpg} is given for each k Z by:
Py =S7ipk= ) G lu p (73)
|
inan Lz—sensg

Proof. Seq Appendix A.

If we now setp, := p(- — n) € L? the Riesz-basis is generated by shifts of a stable geneaatb#{ = V(p)
becomes a principal shift-invariant (PSI) space,
which is a separable Hilbert subspace.éfas discussed in Secti@n%.1. The canonical tight frame aat&in

then generates a shift-orthonormal basis, i.e. an orttoalagenerator. The reason is that shift-invariant framebs an

9 This statement was already given without further explamatty Y. Meyer in|[4B] equation (3.3). Note that Y. Meyer useddition (3.1) and

(3.2) in [43] which are equivalent to the Riesz basis cooditi
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Riesz bases are the same in regular shift-invariant sp&€ed'h.2.4]. So any frame becomes a Riesz basis (exact

frame) and any tight frame an ONB (exact tight frame). Hemeeadgular PSI spaces there exists no redundancy for

frames. This generalize the Léwdin transform for genegadiisquare-root Nyquist pulse to any stable genemator
From Meyer|[43] we know thaf{73) can be written in frequenoyndin as the orthogonalization trick. Therefore

the limit of the Léwdin transformatioB = B: V(p) — V(p)

LEney g,

0 Zrp)0.7)

equals the inverse square-root of the frame operatérin (73)

f Bf = (74)

5.2. Optimality of the Léwdin Orthogonalization

Janssen and Strohmer have shown_ in [20] that the canorgtdiftame construction of Gabor frames 10t is
via Ron-Shen duality equivalent to an ONB construction @atjoint time-frequency lattice. Furthermore they have
shown that among all tight Gabor frames, the canonical cocisbn yields this particular generator with minimal
L2-distance to the original one. However, for S| spaces thigrglity of the Lowdin orthogonalization has to be

proved otherwise. To prove this we use the structure of eed®bl spaces.

Theorem 3. The unique orthonormal generator with the minimal distance to the normalized stable generator

p € L? for V(p) is given by the Léwdin generatof p

Proof. Seqd Appendix B.

Nevertheless, We have to rescale the orthonormal gengratorrespect the FCC mask, see Seclibn 6. For this
the maximal difference of the power spectmmf the (normalized) optimal designed pulse and the orthmiatized
pulse is of interest, i.e.

p—

CNANn2
ool WL O (75)

1P - 1p°17

Op(v) - 1| )
||_m = esszsu;{ —'&):(v) ' : |p(V)|2} < '

This shows again that this® distortion is also determined by the spectral propertigh@ptimal designed pulge

Lo

and its Riesz bounds. Unfortunately it is very hard to cdntre optimization and orthogonalization filter simultane-

ously as will be shown in the next section.

5.3. Interdependence of Orthogonalization and Optimirati

The causal FIR operation il {13) of a fixed initial putsef odd orderL with clock rate ¥ T, can be also written

in the time-symmetric form as a real semi-discrete convaiut

p=qx,g for ge 52%1 (R). (76)

10| fact theL*-distance of the FCC masi andl;ﬁ"l2 in F is relevant, assumem°|2 is bounded by5r.
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In this section we investigate the interdependence of tRdilier b and the FIR filterg, i.e. the interdependence of
the orthogonalization filter in Sectign 4.2 and the FCC ojaition filter in Sectiol3 for different clock rates. So far
we have first optimized spectrally and afterwards perforthecrthonormalization. In this order for a chosgrhe

orthogonalization filteb depends oy, hence we writdd = by. Moreover the clock rates of the filters differ, hence

we stick the time-shifts as index in the semi-discrete canians. For theT -shift-orthogonal pulse we get then

p"° = (g5, ) *7 by (77)

Let us sefl = ATp andTq = NgqTo for Ny € N,A > 0. Since the filter clock rate dj is fixed to YT, to ensure
full FCC—-range control, the variation is expressedinTo get rid of To we scale the timétot’ = t/To such that
the time—shift ofg is T; = 1. We observe the following effects: 1)§f e Nthenp*® = ¢*°. 2) If A € N then the
distortion byE)g is limited periodically to the interval—[i, i]. 3) If qis already 1-shift-orthogonal amtle N then
by can be omitted and instead adding an extra conditiog torbe aA-shift orthogonal-filter, i.ery(kA) = dio, which
ensures\-shift orthogonality of the outpyp. To see point 1), let us first orthogonaligdy by and ask for the filter

0,4 Which preserves tha-orthogonalization in the presencegfHence we aim at
P> = Py by = o ¥ Gp . (78)

But from (44) we know howbg acts in the frequency-domain:

aA o “5(V)|2 Alo [ 2
P = ———— = @) - G0 (79)
oo 13 |57 | o0V
Sincelp(v)*=1g(v) - 4(v)* and 1 €N we get by thet-periodicity of|g|*

6O)P-1G0E _ 1ae)P
gl Sjav - ©OF  xdav-HF

Hence we getag(k) = dko, which shows 1). The price of the orthogonalization is theslof a frequency control,

o) - a0 = = g0 (80)

since the frequency property is now completely given by thsidpulseq and time-shiftA. In Fig.[10 the effect is
plotted forA € [1, 2] andL = 25. For smallA the distortion is increase by the orthogonalization. This ahows that
a perfect orthogonalization and optimization with the safoek rates is not possible.

In 2) a perfect orthogonalization does not completely utdodptimization, sinc& = A > To = 1. ForA = 2 we
can describe the filter by using the addition theoremg(n+ 1/2)* = Fg(v +1/2) = 2rq0 — Fy(v) by

2 2

L 2k g(V+2) S 2k+1
(v~ 3] =t Zfar+ 5 o> 70|40 + @,0)] @1
;(Z)QK(Z) ( )g[“(())]
=10y(v)
which results in the filter power spectrum{79)
5 2 2rg0 ()|
s = [1+(785 ) 59) 2
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But since we fixedA = 2 andq we can calculatedq, ®; and g*°. This provides a separation of the filter power
spectruntgy(v) = 16(»)|? and the orthogonalization. Unfortunately, this does neldjiinear constraints fary.
Finally, note that the time-shifts and hence the filter cleafes have to be chosen such that an overlap of the basic
pulse occurs. Otherwise a frequency shaping is not possible

Case 3) assumes already a shift-orthogonality. We only taensure that the spectral optimization filtgr
preserves the orthogonality. This results in an extra gality constrain for the filteg, which can be easily
incorporated in the SDP problem of Sectidn 3, see Davidsaoal @t [? ].

Summarizing, the discussion above shows that joint opétitin and orthogonalization is a complicated problem

and only in specific situations a closed-form solution seenge possible.

5.4. Compactly Supported Orthogonal Generators

For PPM transmission a time-limited shift-orthogonal pusnecessary to guarantee an ISI free modulation in a
finite time. Such a PPM pulse is a compactly supported orthag@SO) generator. In PPM this is simply realized
by avoiding the overlap of translates.

To apply our OOPPM design it is hence necessary to guarantempact support of the Lowdin generator
given in Theorerl2. In this section we will therefore invgate the support properties of orthogonal generators. The
existence of a CSO generator (with overlap) was already shywbDaubechies in [19]. Unfortunately, she could not
derive a closed-form for such an CSO generator. Moreoverbtain a realizable construction of a CSO generator
this construction has to be performed in a finite time. So diwdin construction should be obtained by a FIR filter.

PSI spaces of compactly supported (CS) generators, weraatbdzed in detail by de Boor et al. in_[37] and
calledlocal PSI spaces|f the generator is also stable, as in Theofém 2, then théstsea sequence € ¢? such
thatp «’ cis an CSO generator. Moreover, any CSO generator is of this.f@o investigate compactness, de Boor
et.al. introduced the concept tifiear independenshifts for CS generators. The linear independence propéy

CS generatop is equivalent by [37, Res. 2.24] to
(ZP)@- ez #0 forall zeC 83)

where (#p) denotes the Laplace transform mf This means#p) do not have periodic zero points. Note that this
definition of independence is stronger than finitely indej@te, see definition in_[37]. If we additionally demand
linear independence gf in our Theoreni 2, then this CS generator is unique up to shift scalar multiplies.
Furthermore, a negative result is shownlin/ [37], which edeBithe existence of a CSO generatop ifself is not
already orthogonal. But ip is already orthogonal, thep is unique up to shifts and scalar multiplies and then the

Léwdin construction becomes a scaled identity (normatjzihp). The statement is the following:

Theorem 4(Th. 2.29in [37]) Let pe L? be a linear independent generator f8(p) which is not orthogonal, then
there does not exists a compactly supported orthogonalrgerep® for S(p), i.e. there exists no filtéy € £2 such
that P = p+’'b.
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If pis a linear independent generator which is not orthogohah the Léwdin generatq® has not compact
support. We extend this together with the existence anduamigss of a linear independent generator for a local PSI

spaceS(p):

Corrolary 1. Let pe L? be compactly supported. If there exists a compactly supdantthogonal generator°gfor

S(p), then it is unique.

Proof. Any CSO generatop°® € L? is a linear independent generator by [37, Prop. 2.25(chcéthe linear indepen-
dent generator is unique by |37, Th. 2.28(b)], the CSO geaeimas well. O

Remark In any case there exists an orthogonal generator for a R8akpace. For a stable CS genergiamur
Theoreni 2 gives an explicit construction and approximafitoran orthogonal generator by an IIR filtering pf If

the Lowdin generator is not CS, it is the unique orthogonakegator with the minimaL?-distance to the original
stable CS generator by TheorEm 3. So far it is not clear whétleee exists a IIR filtec € £ which generates a CSO
generator from a stable CS generator or not. What we can shgtiff the inverse square-root of the Gram matrix is
banded, then the rows corresponds to FIR filters which pre@f®0 generators, since the semi-discrete convolution
reduces to a finite linear combination of CS generators. Bddta sufficient condition for the Léwdin generator to

be CSO, but not a necessary one.

6. Application in UWB Impulse Radio Systems
Here we give some exemplary applications of our filter desigveloped in Sectidd 3 and Secfidn 4 for UWB-IR.

FIR filter realized by a distributed transversal filtefhe FIR filter is completely realized in an analog fashion. It
consists of time-delay lines and multiplication of the ihputh the filter constants. Note also that these filter values

are real-valued. An application in UWB radios was alreadysidered inl[57].

Transmitter and receiver design®©ur channel model is an AWGN channel, i.e. the received sigbeas the trans-
mitted UWB signalu(t) given in [8) by adding white Gaussian noise. For simplioityhe discussion we omitted the
time-hopping sequende,} in (§). We propose now threé — ary waveform modulations for our pulse design. Since

our proposed modulations are linear and performed in thelzaed, the signals (pulses) are real-valtied.

() A pulse shape modulation (PSM) with the Léwdin puw"’“"}:}"‘:_M, which corresponds tod-ary orthogonal
waveform modulation. The'th messagenis transmitted as the signa(t) = V& anpy™™(t-nTs) = a,Sm(t—nTy).
The receiver is realized by correlators using the Léwdin pulses as templates. Fromdfrelators outpult, the

absolute value is taken due to the random amplitude fliprbgee FiglB.

1INote that our proposed pulse design can be also used for d@ompdulations (carrier based modulation), e.g. for OFDINF8K.
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Figure 3: Optimal Receiver fdd-ary orthogonal modulation with scaled Léwdin pulsgs:= \/S_in'O’M.
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Figure 4: Matched filter receiver for an ALO and LO-OPPM sckem

(b) The centered ALO and LO pulgg™*™ := pJ>M resp. p™>M := pl->M for an OPPM design are in fact a
non-orthogonal modulation scheme with a matched filter atrédceiver, see Fidl 4. Theth messagem is
then transmitted as(t) = V& a,p">M(t — nTs — mT) in the ALO-OPPM design. The matched filter output

NTs+Ts/2

yit) = [, r(r)p">M(r — t)dr is sampled for the'th message ag(nTs + mT). (for LO-OPPM usep™>M)

(c) Thelimiting OOPPM design with the Lowdin pulp@is not practically feasible, since we have to use an IR filter
Hence we only refer to this setup as the theoretical limite Tansmitted signal would h&t) = V& a,p™°(t —
nTs — mT) with the matched filteh(t) = p™°(t). Note that the receiver in Figl 4 also has to integrate dver t

whole time due to the unlimited support, which would prodanenfinity delay in the decoding process.

Scaling with respect to the FCC maskhe operation8™ andBY generate pulses which are normalized in energy
but do not respect anymore the FCC mask. So we have to finddontthpulse its maximal scaling factes, > 0 s.t.
~o 2
jam - B0 < S () (84)
is still valid for anyv € F. This problem is solved by

1
ao.M[2||72
|

VS

A0

L= (0.F] ’Dn& L=([0,F])

(85)
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For the scaled Léwdin pulses we can easily obtain the foligwipper bound for the NESP vallie](14)

2 2

il |

~o,M[|2 N
* oMy _ pr Pm ||L2 SF = ! SF = - S:
n(ampm ) _ < = . AVO’M — g dl e = 3 . TMZ (86)
k& F P lieqory  Fo IPm lhqorr Fo [[|BRY[]] c o.

where we denoted withg, = fF Sr the allowed energy of the FCC mask in the passldgndrhus, the maximization
P
of the symbol energg under the FCC mask is the maximizationagf in (85), i.e. a maximization of the*-norm

in the frequency domain.

Remark We want to emphasize at this section, that the FCC spegqitathization is rather an optimization of the

power in an allowable mask given by the FCC, than an optirtraif the spectral efficiency of the signal. Although
the PSWF’s have the best energy concentratior W, W] among all time-limited finite energy signals [15], they are
not achieving the best possible nesp value [9]. The reastimaisspectral efficiency with respect to UWB is to utilize
as much power from the UWB window, framed by the FCC m&skas possible. So the price of power utilization in
[-W, W] under the UWB peak power limi, is a loss of energy concentration and hence a loss of spefftciency

compared to the PSWF's.

6.1. Performance of the Proposed Designs

For a given transmission design, consisting of a modulatiteme and a receiver, the average bit error probability
P overEy/Np is usually considered as the performance criterion. Weideneeal-valued signals in the baseband with
finite symbol duratio's. The optimal receiver for a non-orthogomddary waveform transmission is the correlation

receiver withM correlators, see Figl 3 with maximum likelihood decision.

N-ary orthogonal PSM for schenf@) above. The average (symbol) error probability fbk-ary orthogonal pulses
with equal energy can be upper bounded hy [58]

Pe<(N-1) erfc[ \/NE] (87)
0

Note, that this error probability is the same as for an ortimagPPM modulatiori(11). To obtain equal energy symbols

and FCC compliance we have to scale each Léwdin pulse with= o* = Minm{ag,}-

N-ary overlapping PPM for schem@) above. Here we can substitute tHe correlations by one matched filter
h = p™>M resp.h = p™>M and obtain the statistid,| by sampling the output. The average error probability per
symbolP. given exactly inl[58, Prob. 4.2.11] for equal energy sigrsald can be computed numerically. The energy
is given by V& = a* = o}, and VE = a; calculated in[(85) fop™>M resp.p™>M. Upper bounds obtained in [59] can
be used for the ALO resp. LO average error probability

1 & L 1Y &
Pesééerfc{ 2—N0(1—p1,-)] and Pesééerfc[ Z—NO(l—plj)] (88)
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Figure 5: Optimal pulsg for L=25 and basic pulse = p for L=1 in time-domain in generic units (GU).

with p1j = &rprem(jT) andpy; = SrpT.ovm(jT), since the symbols are given lsy = VEp™>M(- - |T) resp. § =
\/gf)T’°’M(~ —jT)for j=1,...,N. The error probabilities depend on the pulse energy andedebay of the sampled

auto-correlation defined i (88).

6.2. Simulation Results

The most common basic pulse for an UWB-IR transmission isgghassian monocycley(t) ~ t - exp (-t?/c?)
whereo is chosen such that the maximum|@ff)|? is reached at the center frequerfgy= 6.85GHz of the passband
[4]. Since we need compact support and continuity for ouistrmigtion, we maskj with a unit triangle windowA
instead of a simple truncation. Also any other continuousdew function which goes continuously to zero (e.g. the
Hann window) can be used, as long as the lower Riesz b8un@ can be ensured, see Theofdm 2. We have used an
algorithm in [3] to computé andB numerically. Note that for any continuous compactly supgubfunction we have
afinite upper Riesz bourig, seel[60, Th.2.1]. The width (window length) is choseifgo= To = NgTo = 0.21428ns,
such that at least 999% of the energy of] is contained in the window-{Tq/2, Tq/2], see Fig[b. We express all
time instants as integer multiples 8. Also, in Fig.[3 we plot the optimal pulse obtained by a FIRefilof order
L = 25 which results in a time-duration, = 30Tg = 5T of p. In our simulation we choosgy := 6Tg = NgTo
andL = 25 as the filter order of the FCC-optimization. Hence, theénoged pulses have a total time duration of
Tp = (L—1)To+ Tq = 30To = NpTo.

The Riesz conditiori (32) has been already verifiedlin [3] iss particular setup. Theordrh 2 uses the normaliza-
tion T’ = 1. Translating between different support lengftis= K is done by setting := t'T,/K. Now the support
of p(t") is [-K/2,K/2] with fixed T’ = 1. To obtain good shift-orthogonality, we have to chobdse- K. This we
control with an integer multiplen= 2, i.e. M = mK = 2K. The support lengtfis of all the LO (ALO) pulses is then
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given as

Torem = (N = 1)T + Tp = (2mK)Tp/K + NpTo )

= Tyrem = (2m+ 1)NpTo = 150T,.
Now the time slot £ Tyrem/2, Tyrem /2] exactly containdN mutually orthogonal pulsegpl>M}, i.e. N orthogonal
symbols with symbol duratiofis = Tgr.m having all the same energy and respecting strictly the FC€kmehis is
a N-ary orthogonal signal design, which requires high compjeat receiver and transmitter, since we need a filter
bank ofN different filters.
Our proposal goes one step further. If we only consider otez,fivhich generates at the output the centered Lowdin
orthonormal puls@’*>™, we can use this as a approximated square-root Nyquist pitls@ PPM shift ofT = Tp/K
to enableN-ary OPPM transmission by obtaining almost orthogonality.

Advantages of the proposed design are: a low complexityaatstnitter and receiver, a combining@andb
into a single filter operating with clock ratg T andq as input if T = T,/(ToK) € N, a signal processing "On
the fly” and finally a much higher bit rate compared to a bineBM. The only precondition for all this, is a perfect
synchronisation between transmitter and receiver. In fagthave to sample equidistantly at rate ¢T 1 The output
of the matched filteh(-t) = p™>M(t) is given by

0 = [ " - e (90)

and recovers theith symbol. The statistit,, = y(mT) is the correlation of the received signal with the symggl
see Figl 4. Note that the shifts have support in the winde®dT jr-m, 1.5T;r-m], but are almost orthogonal outside
the symbol window £ T 5rem /2, Trem /2] due to the compactness and approximate shift-orthogdvaabcter of the
Lowdin pulsep™M.

In Fig.[8 the centered orthogonal pulses Tor= 5Tq = 5T,/6 match almost everywhere the original masked
Gaussian monocycle, since the translates are almost nefeapping, hence they are already almost orthogonal. For
T = To = Tq/6 the overlap results in a distortion of the centered ortinagjpulses, where the ALO pulses have high
energy concentration at the boundary (circulant extensidine Gram Matrix).

In Fig.[d the pulse shapes in time for the centered Léwdinagtimal pulses are plotted. The ALO pulses are
matching the LO pulses far > 2Ty almost perfectly such that we did not plot them, since theltgi®n of the plot is
to small to see any mismatch. Only for the critical shift Ty a visible distortion is obtained at the boundary. In the
next Fig[8 we plotted therefore the ALO and LO pulseToe 1.5T, to show that the ALO pulses indeed converge
very fast to the LO pulse it > Ty. The reason is that for small time shiftspthe Riesz bounds and so the clustering
behaviour ofGy andG;,l% decreases. Hence the approximation quaIitﬁ@,% with é;,l% decreases, which results in
a shape difference.

To study the shift-orthogonal character of the ALO and LOspslfor variousl, we have plotted the auto-
correlations in Figl®9. As can be seen, the samplesi(mT) = pim = oo, i.€. they vanish at almost each sam-
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Figure 7: Orthogonal pulsgs->™ with L = 25, M = 2K and variousT = Tp/K.
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Figure 9: Auto-correlation of pulses for= 25T = Tp/K.
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Figure 10: PSD of pulses fdr= 25T = Tp/K.

ple point except in the origin. The NESP performance forawsivalues ofl is shown in Fig[CID. Approaching
T = To cancels the FIR prefilter optimization gf i.e. the spectrum becomes flat. Finally, in Figl 11 the géiouo

orthogonalization strategy can be seen. In both cased|-liy OOPPM design transmit at an uncoded bit rate of

log(N) log(4K +1)

R(K) = T. 1507,

(91)

Fig.[11 shows the NESP valyever the transmit rat®, for L = 25 andm = 2. Decreasind = Tp/K results in more
overlap, which increases the number of symidis Ts and hencd,, but only slightly decreaseg see Figl 1I0, 1.

Summarizing, a triplication of the transmit rate fromi8Gbit/s to 06Gbit/s is possible without loosing much
signal poweiS/Ts . Let us note the fact that the transmit bit data rate is an dedoate and is not an achievable rate.
For an analysis of achievable data rates by deriving the ahirttormation of the system see the work of Ramirez et.
alin [16] and Guney et. al in [62]. Obviously, the unshapedi€s&an monocycle then yields the highest transmit rate,
since [[91) behaves logarithmically in the numbkeof symbols, as seen in Fig.111. But this has practically z&B S
when respecting the FCC regulation and results in a high eate [8T)[(88). On the other hand, a longer symbol
duration, allows in[(#}) a higher ener@yand hence a lower error rate [n{11).

Hence, the decreasing of the transmit rate due to the ine@agmbol duration used for FCC optimal filtering of

the masked Gaussian monocycle can be more than compengatezifroposed OOPPM technique.
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7. Conclusion

We have proposed a new pulse design method for UWB-IR whiokiigees high spectral efficiency under FCC
constraints and allowing B-ary OPPM transmission with finite transmission and reogjitime by keeping almost
orthogonality. In fact, the correlation parameters candspkoelow the noise level by using small time-shifts Tp.

As a result, this provides much higher data rates as compgarB&®SK or BPPM. Furthermore, our pulse design
provides a N-ary orthogonal PSM transmission by gettingnefdoit error rate at the price of a higher complexity.

Simultaneous orthogonalization and spectral frequenagisly is a challenging and hard problem. We believe that
for certain shifts being integer multiples ©§, a numerical solver might be helpfully to directly solve twmbined
problem as discusses in Sectionl5.3.

We highlight the broad application of the OOPPM design, mdy deing limited to UWB systems but rather

applicable to a pulse shaped communication system undeabftequency constraint in general.
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Appendix A.

Proof of Lemmé&llLeta, b € R with a+ b = —1. ThenS? andSP®, defined by the spectral theorem, are also positive
and self-adjoint or{. Moreover for eactf we have the following unique representatibe Y, ckpx with ¢ € 13(Z)

due to the Riesz basis property. Foe p; in (Z2) we get
Pr= D (ST P, = ) (SPP1 SPP),, P (A1)
k k

sinceS?p;, SPpx € H there exist unique sequenag@sdy s.t. S2p; = 3, Cla Pa» SPPk = 25 dksps. Hence we get

p=> [Z Cio P ), Ohs pﬁ] P (A.2)
% 7

= > Gt Pas D)y P (A.3)
k apB

= Z Z[C]Ia[G]aﬁ[D*]ﬁkpk = Z[CGD*]lk Px (A.4)
k apB k

wherec,, anddg are the coefficients of the biinfinite matric€gesp.D. Since for each € Z we have), 6k px = pi
and{[CGD*]i}, {6} € €2, we get 0= Y, ([CGD*]i — di) p« for eachl € Z. So by [42, Th.6.1.1(vii)] we can conclude
that [CGD*] |k = 6 for all I, k € Z and get

CGD*'=1e G=C}D)'e Gl=DC. (A.5)

ObviouslyD andC are not an unique decomposition®f, sincea andb are not. Ifa=b = —%, we haveD* = C*
and henc&~z = C = D. This establishe§(73) in drf-sense. O

Appendix B.

Proof of Theorerl3Let us first note tha¥/(p) is a regular Sl space singeis a stable generator. This has as con-
sequence that frames are Riesz base¥/{@) [61, Th. 2.2.7 (e)]. So any elemefite V(p) = p +’ ¢ is uniguely
determined by a#” sequence. By the Riesz—Fischer Theorem this sequendefines by its Fourier series a unique
L2([0, 1])-functiont = & Hence, the Fourier transform of ariye V(p) is represented uniquely hyasf = 1P,
see also/[37, Th.2.10(d)]. On the other hanid an orthonormal generator if and onlydf = 1 a.e.. By using the

periodicity ofr we get
Of = ) 1p(- = WPl ~ WP (B.1)
k
=1t D 1p( =P = I - @p = 1. (B.2)
k

Thus, we havér| = 1/ \/®, almost everywhere. Let us set= 1/ /@, a.e. and a complex periodic phase function
¢ =€ R - {zeC]| |4 =1} with e : R — [0, 2] 1-periodic and measurable. Then any functioa L2([0, 1])
which satisfy [B.2) a.e. is given by= 7 - ¢ a.e.. TheL?-distance is then given by
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Ip— fI1% = B fII>, = 1D — PIZ = Pl + Bl - f |pP - f 1Pl (B.3)
R R
= 2—f(r+?)|f)|2=2—2fcos@) PP D, 2 (B.4)
R R
> 2—2fR||6|2<Dp’% 21— (p.p),.). (B.5)

Since|pl? is positive andDb;, is bounded and strictly positive a.e. the distance is mipgahif and only ifa(v) = 0
a.e. inR, i.e. if we have equality if(BI5). Henge= 1 a.e. and s@ = 7 a.e., which corresponds hence to the unique

orthonormal Léwdin generatdr= p° with an L?-distance tqp given in [B.5). O

Remark Note, that in fact the phase functigrhas no influence on the power spectruﬁgj2 = |¢p7PI? = I7PI° = |P°)°.
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