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Abstract—Recently, hybrid-automatic-repeat-request (HARQ) the channel attenuation is strong. Thus, in order to provide
systems have been favored in particular state-of-the-art@nmu-  petter error correction performance, FEC and ARQ have been
nications systems since they provide the practicality of eor merged to form hybrid-ARQ (HARQ).

detections and corrections aligned with repeat-requests ken
needed at receivers. The queueing characteristics of thesgstems Several HARQ protocols have been suggested and ana-

have taken considerable focus since the current technology yzed. For instance, originally proposed by Wozencraft and
demands data transmissions with a minimum delay provision- Horstein [1], Type-l HARQ (HARQ-T1) relies on a blended

ing. In this paper, we investigate the effects of physical ler process of error detections and error corrections while the
characteristics on data link layer performance in a general ayransmission of one packet is initiated if this procests.fa

class of HARQ systems. Constructing a state transition mode . . .
that combines queue activity at a transmitter and decoding Subsequently, unlike HARQ-T1 in which the past erroneously

efficiency at a receiver, we identify the probability of cleaing acquired signals are discarded, Type-ll HARQ was introduce
the queue at the transmitter and the packet-loss probabiliy at in [2]. Additional information is transmitted to the receiv

the receiver. We determine the effective capacity that yiels the hen the receiver fails decoding the acquired signal. Ot tha
maximum feasible data arrival rate at the queue under qualiy-of- account, one of the leading studies introduced an adaptive-

service constraints. In addition, we put forward non-asympotic . .
backlog and delay bounds. Finally, regarding three differat feedback coding strategy that performs Type-Il HARQ with

HARQ protocols, namely Type-l HARQ, HARQ-chase combining incremental redundancy (HARQ-IR)I[3]. Likewise, a widely-
(HARQ-CC) and HARQ-incremental redundancy (HARQ-IR), known method of packet combining technique, named Type-

we show the superiority of HARQ-IR in delay robustness over || HARQ chase combining (HARQ-CC), has been analyzed
the others. However, we further observe that the performane gap in [4]. In HARQ-CC, the repeated transmissions of a packet

between HARQ-CC and HARQ-IR is quite negligible in certain . . . .
cases. The novelty of our paper is a general cross-layer awyais before being decoded, are linearly added in order to obtain

of these systems, considering encoding/decoding in the igal @ power gain. From then on, Type-I and Type-ll HARQ pro-
layer and delay aspects in the data-link layer. tocols have been analyzed from various perspectives such as

coding performancé [5]=[7], outage probability [8], andyso
. . ) _optimization [9], [10]. Furthermore, a link-level perfoamce
Due to the dynamic nature of wireless media, transmissi@gmparison of these two techniques has been investigated in
errors easily occur, especially when channel fading is tm’ and it was shown that HARQ-IR can be significantly
strong. Hence, in order to ensure an error-free (Or efQfatter than HARQ-CC, especially for high channel-coding
minimized) transmission, error detection and correcterht | 5ies and high modulation orders.
nigques such_as automatic-repeat-request (ARQ) and fOFwardMeanwhile, since HARQ systems may require the retrans-
error-correction (FEC) are engaged in certain classes of Comjssions of packets, delay-sensitive traffic concerns Hve
munications systems. Specifically in ARQ-furnished system,ome a research focus as well. For instance, considering ada
the receiver feeds the transmitter with either a positive ag,e modulation techniques, Villat al. investigated latency-
knowledgment (ACK) or a negative ACK (NACK) after eachonstrained networkg [12]. In another line of research, the
data pgcket is r\_"-;celved correctly or incorrectly so that thgihor in [13] formulated the design of an HARQ system as
transmitter can either send the next packet or resend the sgNstochastic control problem where the transmitter cositrol
packet, respectively. On the other hand, in FEC each paskefje code rate of each packet in order to achieve a minimum
encoded by introducing redundant data bits for the receivgferg)| average delay. Similarly in[L4], effective capgagiL5]
to detect and correct errors. While FEC provides a fixed qual of effective bandwidti [16], has been characterized
transmission rate, it does not adjust error correction €iipa a5 the performance metric. A two-dimensional continuous-
with respect to channel variations. However, ARQ can adaptgme Markov channel model has been employed in order to
the channel variations by resending the transmitted packet jtition the instantaneous data rate received at thendistn
that respect in ARQ systems, the transmission of a packet Gap, j finite number of states each of which is representing a
be completed in a shorter period if the channel attenuatigihde of operation of the HARQ scheme. In addition, Huang
is weak, whereas it can be completed in a longer perioddf 5. conducted the analysis of queueing performance of

This work was supported by the European Research CounailrBtdrting HARQ sygtems by mOdeI'ng the wireless ghannel as a tW_O-
Grant—306644. state continuous Markov process and derived the queueing
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& | “ransmitten Receiver For instance, the adoption of linear coding and modulation
2 ACK/NACK schemes in HARQ protocols and their delay performance can
%-’ Butier | |(— ik be easily analyzed using this conduct. The organization of
w | MAGSY ) | the rest of the paper is as follows. In Sectioh I, we describe
ERzader Channel R Pecader the system model. Then, we discuss in Secfioh Il the sys-
, | | 1 tem performance regarding packet-loss probability, ¢ffec
MOd”'atorTx—’!l"'“ pemodilator) capacity, and non-asymptotic performance bounds. Finatly
ﬁ provide the conclusion in SectiénllV, and the relegated fsroo
h w in Appendice$ A an@B.

Il. SYSTEM MODEL
Fig. 1. Channel model. The transmitter initially stores dla¢a packets in its . . . . L
buffer, subsequently encodes, modulates and forwardsdeiatpacket to the [N this section, we present in detail the transmission and

receiver through the wireless channel. Then, the receeeid the transmitter channel model, a general view of HARQ systems, and the
with ACK/NACK depending on its decoding performance. state transition model of these systems.

A. Transmission and Channel Model

delay from generating functions of the finite-buffer-capac  We consider a point-to-point transmission system in which
system [[17]. Using the framework of the statistical networkne transmitter and one receiver communicate over a wireles
calculus, the authors investigated the delay performaricefading channel as seen in Figlile 1. In this model, it is assume
block codes with more or less redundancy![18]. Finally, wehat the transmitter initially divides the available datsoi
note that taking the first order expansion of the effectiygackets o bits and stores them in its buffer. Then, it performs
capacity under loose quality-of-service (QoS) constginto the encoding, modulation, and transmission of each paoket i
account, the authors in_[19] studied the impact of deadlinne-slots of7” seconds with the first-come first-served policy.
constraints, outage probability, and QoS constraints @ th is further assumed that each packet should be transmitted
energy efficiency in HARQ systems, and compared HARQn maximum M T seconds due to a transmission deadline for
CC and HARQ-IR protocols. each packet wher#/ is an integer. Specifically, if a packet is
Different than the above studies, we evaluate the queueig received correctly by the receiver at the end of Mié"
performance of a broad range of HARQ wireless systergfot, it will be discarded from the transmitter queue. Dygrihe
by modeling the transmitter queue activity aligned with thgansfer of each packet, if the packet is successfully dedad
decoding performance at the receiver as a disciétstate the end of any slot, the receiver feeds the transmitter with a
Markov process with a transmission deadline strategy faICK, and the transmitter removes the packet from its queue.
each data packet. To the best of our knowledge, a cross-lageherwise, the receiver sends a NACK, and the transmitter,
examination of a general class of HARQ systems, regardiggpending on the transmission protocol, either repeats the
the effect of wireless channel attenuation on decodingoperfsame encoded packet or sends the next partition of a larger
mance in physical layer together with queueing performanggdeword in the next slot. We note that a removal of any
in data-link layer, has not been performed. Singly, we cafata packet from the buffer, either as a result of a successfu
express our contributions with the following: decoding by the receiver or due to the transmission deadline

o We identify an approach and construct a state-transitisconsidered to be a packet service from the queue.
model for any HARQ system to investigate how advanced All along, the discrete-time channel input-output relatio
transmission schemes at the physical layer affect thiee t** symbol instant is given as

ueueing performance at the data link layer.

. (Lquing thg zbove model, we analyze the in>t/erplay between y(t) = h(t)z(t) +w(t) fort=0,1,--,
the packet-loss probability at the receiver due to transmighere z(t) is the complex channel input ang(t) is the
sion deadlines, and the steady-state probability of elgaricomplex channel output. Abovéw(t)} forms an independent
the transmitter queue. and identically distributed (i.i.d.) sequence of additzero-

« We obtain a closed-form expression for the effectiviean circularly symmetric, complex Gaussian random noise
capacity of HARQ systems, which provides the maximuiariables with a variancé&{|w(t)|?} = 2. Furthermore,
feasible arrival rate at the transmitter queue under Q¢$t) denotes the fading coefficient between the transmitter
constraints such as the asymptotic probabilities of buffahd the receiver with an arbitrary marginal distributiordan
overflow and delay violation. a finite varianceE{|h(t)|*} = E{z(t)} = o7 < oo. Note

« Considering the stability condition of the queue, wenhat, here and throughout the papeft) = |h(t)|?> denotes
analyze the non-asymptotic backlog and delay boundsie magnitude-square of the fading coefficients. We further
these systems. assume that channel side information (CSlI) is availabléeat t

In this paper, we provide a general framework to investigateceiver, i.e., the receiver knows the actual valug @, while

the interactions between the QoS concerns, and the codihg transmitter is only aware of channel statistics. Bessidae
and modulation techniques embedded in HARQ protocots. a limited power budget, the channel input is subject to the
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Fig. 2. State-transition model with/ states. The number of bits removed from the transmitter gigu in State 0, while it is O in other states.

following average power constrairity{|z(t)|?} < P/B where is T seconds, and the available bandwidthAsHz, a total

B is the available channel bandwidth. Since we assume tlodit 7’B complex symbols can be transmitted in one slot.
B complex symbols per second are transmitted, the averageerefore, a codeword &f B complex symbols is assumed to

power of the system is constrained By Finally, we consider be repeatedly transmitted in each slot until either it isodied

a block-fading channel model and assume that the fadihyg the receiver or the transmission deadline is reached. ®AR

coefficient stays constant for a slot duration ‘Bfseconds T1 and HARQ-CC are two of these protocols that perform
and changes independently from one slot to another, i.gerative transmissions of data packets. On the other hand,
h(ITB) = h(ITB+1) = --- = h((l+1)TB — 1) = hy codeword of MTB complex symbols is abstracted infad

in the [*" slot, and|h;|?> = 2. This channel model has beersub-codewords that are transmitted consecutively in elath s
widely used to represent slowly-varying, flat fading chdaneagain until either it is decoded or the transmission deadbn

[20, and references therein]. reached, e.g., HARQ-IR.
In the above model, the instantaneous ergodic channeParticularly, the first partition (codeword or sub-codesvor
capacity in thel*” slot is given by of length T'B complex symbols) is sent to the receiver in

. the first attemﬁ If a successful decoding is performed, the
Ci = Blogy {1+ 7z} bits/sec, forl =0.1,---. (1) eceiver sends an ACK to the transmitter, and then the packet
where the average transmitted signal-to-noise ratio (SNR)is removed from the queue. On the other hand, if a decoding
T B_P2, In @), the capacity is achievable whett) is zero- failure occurs, the receiver sends a NACK to the transmitter
mean Gaussian-distribufbd.e. z(t) ~ CN(0, P/B) [21, Ch. and requests the second partition. Then, the transmittetsse
9.1]. Since a block-fading channel is considered, we dethete the second partition in the second attempt. Equivalenly, f
channel fading power and the instantaneous channel capal@Ving @ successful decoding in any attempt, the packet is
in the I*" slot by 2 and C;, respectively. Additionally, we removed from the queue; otherwise with a decoding failure,
remark that if the transmitter would know the instantaneodi@€ corresponding next partition is t}tlransmnted in the next
channel fading coefficiert;, it could send the data with a rate@ttempt. However, at the end of thé™" attempt, the packet
equal to the instantaneous channel capacity. Since inipeactS rémoved from the queue without waiting for any ACK or
hy is generally not available at the transmitter, we consider'{‘CK since the transmission deadline for a packet is reached
more realistic scenario, where a wireless link is equippid w We finally note that due to a decoding failure at the end of the

. ) Y rth : :
an HARQ protocol, which can be modeled as a discrete-tidé " attempt, if a packet is removed from the queue and not

finite state Markov chain. transmitted again, we deem it as a lost packet at the receiver
in order to differentiate it from the other packet remov&ls,
B. HARQ the ratio of the lost packets to the total number of packets

In general, we assume that before being delivered irl:fgrved by the transmitter is a very critical QoS measuressinc

the channel, a packet of bits is encoded and modulatedt entails the average reliable transmission rate to theivec
into a codeword of length eithef’B or MT'B complex C. Sate Transition Model

symbols. We can easily deduce that since one fading SIOtFor an analytical presentation, we model the queue activity

LCodewords can be composed of symbols from any modulatidmigge at the end of each slot as a discrete-time Markov process. As

with the input distribution@(x). Then, the capacity if{1) is replaced with SE€N 1N Fig[R, following a decoding success at the end of
the achievable rate expressed as the mutual informatiomebetz and y,

i.e., I(z;y). The physical layer framework of this study and the analysis  2In order to differentiate any slot from the slot in which a keicis

the rest of the paper can be easily adopted to any practieedrlimodulation transmitted for the first time, we usgtempt rather tharslot, unless otherwise
technique by using)(z) and I(z;y). needed for clarity.



the m*" attempt, the system enters State 0 with probability nd of them” slot for 1 < m < M is expressed a§ [110]
pm—1, Whereas if a decoding failure occurs the system enters m—i

Statem with probability p,,,—1 wherem € {1., S M — 1% clrm=1 = B logy 4 1+ Z Zivi bits/sec

On the other hand, regardless of the decoding result at tthe en m ‘=0

of M'" attempt, the system goes to State 0 with probability . L o )
since the transmitted packet is removed from the queue du%&ﬂ’e{ Wh"i G is _tge thanrlﬁl capacity ";1 the Iﬂrst Sl(?;[' .
the transmission deadline. We note that a packet tranghiitte f U(;ar: te ?\?nt.s' etrr? t?r? € average cdann% capamli/ Itn
the M*" attempt is decoded either correctly with probabilit)u:eth'rs jofs. tho Iln? r? 2 reiegﬂnf?{] ecoh €a &ac €
1-par—1 or incorrectly with probabilityp,,—;. Accordingly, ?” € en tcimt S(')t' W enl;n_i%.l.—f ! » We have the

we have the following state transition matrx ofiowing state transition probablities.

1—=po 1=p1 1—=p2 -~ 1—=—py— 1 Prm—1 = Pr {L > C’llJ”"_l|L > Cll+m_2}
Do 0 0 e 0 0 mT (m—-1T
0 P1 0 0 0 B Pr{# >Cll+m—1}
0

pP= 0 0 o 0 a n I+m—2
) ) p.2 Pr { =t > G }

: : : " : : m—1
0 0 0 - pu— 0 B Pr{”>zz‘:0 Zlﬂ'} B v (m,k/0})

= Pr{ﬁ>2£6221+i} (m—1)y(m—1,k/0})

Now, noting that the analysis in the paper is for a general
HARQ protocol, we consider the following three different h M Ao — —r/o? Ab b
HARQ protocols in a Rayleighchannel fading environment /"€ € {2,--+, M3}, andpy =1—e"'. Above,y(a, b)
is the lower incomplete gamma function whety¢a,b) =

for a profound examination.
P _ ) ) é’t“*le*tdt, and x is as defined in Sectioh 1I-C1. Note
1) Type-l HARQ (HARQ'Tl?' In this protocol, _the _transmlt- that the sum of exponentially-distributed random variake
ter encodes and modulates its data packets, loifs, into one o - distributed
codeword by using a channel code of a codeb6ok CT? J '
3) Type-ll HARQ-IR: In this protocol, different than the

of length TB over the complex numbers. The codeword isth w tocol that the t it q
transmitted over the channel in one slot. We assume thagif (A o' WO Protocols, we assume that the transmitier encodes
d modulates its data packets, iofbits each, by using a

transmission rate is lower than or equal to the instantaﬂne(fel}\;l
q channel code of a codebodke CM7B of lengthMT B over

channel capacity in[{1), i.eit < (), the receiver is able ) o
pacity inL{1) T ﬁge complex numbers. Then, the transmitter divides the-code

to decode the codeword reliably. On the other hand, if t , e ,
transmission rate is greater than the capacity, £e> C; words intoM partitions of the same length withiB complex
: ' symbols. In each slot, one partition is sent to the receaved,

the receiver cannot recover the packet correctly. Feajuain : . .
the receiver decodes the message using the current partitio

receiver that does not perform accumulation of data, &t t bined with th iousl ved partiti lathe

uses only the current received signal in any slot in order gm dmg dWI elE)rev:_c')usy refc:?lve. pa;]| lons rE% 22

retrieve the packet, the decoding failure probability iry alot encoded data pac eF. ence, following the resu [22], we
can see that the receiver can decode the transmitted datet pac

's given by at the end of then'” slot, if 7 < Z;’:Ol Blogy (1 + vz144).

p= pr{ﬁ > Cz} =Pr{k>z}=1- e H/oh Subsequently, we can express the state transition prdiesbil
T form e {2,---, M} as follows:

where the probability density function of exponentially-

distributed z; (i.e., Rayleigh distributedn;) is f.,(z1) = Pr {7/@ +1> H;’fol (1+ 'yzm)}

e=#/% andk = (275 —1)/~. Since any state transition does Pm—-1= —

not depend on the past transitions, we have py = - = Pr {WJF 1>][5 (A +’Yzl+z')}

PM-1. wherepy = 1 — e~/ and« is as defined in Sectidn I=C1.

2) Type-Il HARQ-CC: In this protocol, we again assume
that the transmitter encodes and modulates its data packets
n bits each, by using a channel code of a codeb@ak C*2 1. SYSTEM PERFORMANCE
of length7'B over the complex numbers. However, different
than the receiver structure in Sectign THC1, we devise a), this section, we concentrate on the performance measures

receiver that makes use of the received signals in the earlig (e HARQ systems with the above defined state-transition
slots by implementing maximum ratio combining. Hence, theoqgel. We initially obtain the packet-loss probability &gt
average accumulated mutual information at the receivereat teceiver, and then determine the effective capacity which
provides the maximum sustainable arrival rate at the buffer
3 _ _ L _ _under certain QoS constraints. We finally provide the non-
The Rayleigh fading channel assumption fits well with HARQ@esues in

practical mobile wireless systenis [10]. However, othernclieh models can asymptotic performance measures in the form of baCk|09 and
be adopted easily into this study. delay bounds.
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Let 1 = [m,---,mar—1]7 be the steady-state probability
vector of the above state transition model in Hif). 2 where
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wherei € {1,---, M — 1}. Recalling that at the end of the
M1 slot, data packets are removed from the queue due to a
decoding failure with probability,; ; and due to a decoding Fig. 5. Packet-loss probabilityyost, as a function of transmissions deadline,
success with probability — pa;_ 1, we can easily express the. for three different protocols when = 0 and 10 dB.

packet-loss probability, i.e., the ratio of the lost pasket the

total number of packets that are served by the transmitiér, w

M, Maximum Number of Transmissions

in all HARQ protocols. All along, HARQ-IR converges very

M-—-2 M—-1
PDlost = Pv—1TM—1 PAI—1 H p; = H ;. quickly, while HARQ-CC performs very close to HARQ-IR.
o i=o =0 On the other hand, HARQ-T1 accomplishes considerably less

in general compared to the Type-1l HARQ protocols forll
Yalues. Finally, we plot the packet-loss probability as acfu
tion of M in Fig.[8. Unlikey, post is continuously decreasing
with increasingV/. HARQ-IR has a significantly lower packet-
%ss probability, and the performance gap between HARQ-IR
and the others increases dramatically with again incrgagin

Note that whilerry is the steady-state probability of removin
a packet from the queue in one slpks: is the probability of
a packet not reaching the receiver.

We employ the aforementioned HARQ protocols, and pl
the average reliable throughput that arrives at the recaiee
M bits/sec, as a function of, i.e., the number of
bits that are encoded and modulated ifit® symbols in one
slot, wheny = 5 dB in Fig.[3. We consider the following B. Effective Capacity
settings: The average channel fading powerjis= 1, the slot  Even though it seems to be advantageous to incréase
duration isT = 100 nsec, and the transmission bandwidth iérder to decreasﬂost, we can prompﬂy infer that the average
B =1 MHz. We observe that while HARQ-IR significantly delay of a packet in the buffer will increase with increasiig
outperforms the other two protocols, HARQ-T1 is the leastherefore, we propose the effective capacity that chariaete
achieving protocol for alln. Fixing a constant number of the asymptotic decay rate of buffer occupancy. It identifies
bits served in all protocdls we further compare the queuemaximum constant arrival rate that a given service procass c
clearing performances of all the protocots,, as a function sypport in order to guarantee a desired statistical QoSfigzbc
of the transmission deadlind/, wheny = 0 and 10 dB in with the QoS exponerit [15]. DefiningQ(¢) as the stationary
Fig.[4. We can see for any that the probabilityr, decreases queue length at time, and § as the decay rate of the tail
generally with increasing/, then it converges after certald  distribution of the queue lengtfd(¢), we can express the fol-
lowing: limg_ o0 w = —6. Therefore, we have the
following approximation for larger: Pr(Q(t) > q) ~ e~%,
which means that larget refers to strict buffer constraints,

4Unless stated otherwise, here and throughout the paper, onsider
the given transmission settings, and choes¢hat maximizes the reliable
throughput at the receiver when HARQ-T1 is employed.



05 . L ==
g2 — 2
£ oasp ~0 3 o9 M
] Sy 2 s
= 5 S s
z 041 ‘/“‘ < 08| == =HARQ-IR A Average
8 P Average 5 = ='HARQ-CC . Service
g (%]
g = = =HARQ-IR ‘*“ Service g —— HARQ-T1
O 0.35|'='='HARQ-CC 2 a 0.7

£\ Rate 8§
g s HARQ-T1 () ©
3 p! 2 06
D L . o 0.6
& 03 Y L
= k) w - .
<, Minimum Service Rate (n/T/M) k & o5} Minimum Service Rate (n/T/M)
a’0.25 )

Q
0.4
N -40 -30 -20 -10 0 -50 -40 -30 -20 -10 0

6, Decay Rate of Tail Distribution (dB) 6, Decay Rate of Tail Distribution (dB)

Fig. 6.
distribution, 6, for three different protocols whef = 0 dB.

Effective capacityps(6), as a function of decay rate of the tail Fig. 7. Effective capacityps(6), as a function of decay rate of the tail
distribution, 6, for three different protocols whemn = 5 dB.

and smallerd implies looser constraints. Furthermore, it ig] respectively. Above, we set the transmission deadline to
shown in [28] thatPr(D(t) > d) < ¢\/Pr(Q(t) > q) for a7 = 4. In both figures, the superiority of HARQ-IR is clearly
constant arrival rates, wher®(¢) denotes the steady-stateseen, and HARQ-CC performs close to HARQ-IR. We further
delay experienced in the buffer, ands a positive constant. see that while the effective capacity of each protocol goes
In the above formulation, we have = ad. Therefore, to the average service rat of the same protocol with

effective capacity provides us with the maximum arrivabratdecreasingg’ all of them go to the same minimum service
when the system is subject to the statistical queue length rfe 2~ with increasing.

delay constraints in the forms dr(Q(t) > q) < e~% or
Pr(D(t) > d) < ce—%24/2 respectively. For a given QoSC. Non-asymptotic Performance Bounds
exponent) > 0, effective capacityps(#), is given by

ps®) = 200 i LiogB{et500) (2)
whereS(r,t) = ZZ:TH r(k) is the time-accumulated service
process, ana(k) for k = 1,2, ... is the discrete-time, station-
ary and ergodic stochastic service process. We note\tftatis
the asymptotic log-moment generating functionsgf), ¢), and
is given by A(0) = limy . 1 log E {9} Henceforth in
the next result, we provide the effective capacity for arvengi
HARQ protocol.

Theorem 1. For the HARQ system with the state-transitiowherepg(6) is the effective capacity angs () is a slack term
model given in Sectiof TI=C, the effective capacity for aegiv that defines an initial service delay. Although the expussi
QoS exponent is given by in (B) seems to be an upper bound, due-t6, in fact (3)
is a lower bound on the expected amount of service. Now,

So far, we have considered the effective capacity that deals
with asymptotic characteristics. However, non-asymptpér-
formance bounds regarding the statistical characteoiaatof
backlog and delay are also of interest for system designers.
For a non-asymptotic analysis we use the framework of the
stochastic network calculus [24]=]27]. Following the mbide
[24, Definition 7.2.1], we define a statistical affine bound fo
the above channel model for aflyas follows:

E {6—05<r,t>} < e~ flos(®)(t=7)=05(6)] (5)

ps(f) = —% log (poe ™ "?y*) bits/sec (3) using Chernoff's lower boun®r {X <z} < % E {e0%}
. . . for 6 > 0, the so-called exponentially bounded fluctuation
wherey* is the only unique real positive root gf(y) where model described in[28] with parametesg(6) > 0, b > 0,
Fly) =y™ — 1 —po M1 PM-2-" D1 and Pr {S(r,t) < ps(e)(t_— T)—=b} < s({)) foIIows,_where_ _
o po p—te—(M=1)no e(b) = e%75(9)¢ =0 gpecifies an exponentially decaying deficit
M-2 (1= pi)pis -+ (4) profile of the service. A sample path guarantee follows by the
-3 1; f:nle P, M-1-i, use of the union bound as:
0

i=1
Proof: See AppendiX’A.

The real positive root off(y) can be found by using Where
numerical techniques. For instance, bisection method ean b
efficiently used to find the solution since it has only one real
positive root. andp’s(0) = ps(9) — ¢ with free parameted < § < ps()—a

Employing, again, the above HARQ protocols, we plot thior an arrival ratea. For a detailed derivation, we refer the
effective capacity,ps(6), as a function of the decay rate,nterested reader t6 [27]. All in all, perceive that the Hagk
9, when~ = 0 dB andy = 5 dB in Fig.[8 and Fig. Q(t) = max,c[{a(t —7)— S(r,t)} has a statistical bound

Pr{3r €[0,t]: S(7,t) < pls(0)(t — ) — b} < £'(b)

6005(9)

e'(b) = W(% (6)
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three different protocols whe = 5 anda = 0.81 Mbits/sec and» = 155. M = 3 anda = 0.18 Mbits/sec.

g = max,cjo{alt — 7) — [pk(6)(t — 7) — b4} that may threshold, as a function of the violation probability,, when

fail with probability Pr{Q(t) > ¢} < £/(b), where[z]; =0 7= 0 dB andy = 5 dB when the arrival rates ae= 0.41

if + <0, and[z], = = otherwise accounts for the fact thatMbits/sec _anda = 0.81 Mbits/sec whilen = 82 bi_ts/slot and
S(7,t) > 0, generally. Ifa < ps(#) for stability. n = 155 bits/slot are encoded and modulated into 100 sym-

bols, respectively. We observe that HARQ-T1 has a very poor

—a b 7) performance when compared with the other Type-1l HARQ
ps(0) =4 protocols. For instance] is around 78 msec when HARQ-

follows for all t. Accordingly, the delay boundr{D(¢) > T1is utilized, whereas it is around 5 msec when the Type-lI

d} < £'(b) can be expressed with= g/a. In (@), b/(ps(d) — HARQ protocols are engaged fer= 10~? andy = 0 dB.

§) provides us with the initial latency caused by the variapili Similarly, wheny = 5 dB, d is reduced from around 11 msec
of the service. Finally, by inversion oFl(6}, can be easily t0 around 4 msec. We remark that the arrival rates are diftere

obtained for any given’ by and are close to the average service rates in both plots. We
1 again observe that HARQ-CC and HARQ-IR achieve delay
— — (log(¢') +log (1 — 6*95)) ) (8) bounds very close to each other. Furthermore, setting a fixed
arrival ratea = 0.16 Mbits/sec ands = 0.18 Mbits/sec, we
As for the existence of the slack ter (¢) in (8), consid- plot the delay bound threshold, as a function of SNRy,
ering the result[24, 7.2.6.ii], we provide the followingrena: in Fig. [I0 and Fig[ll whel/ = 4 and 3, respectively,
while ¢’ = 106 andn = 36 bits/slot. As expected, the delay
Lemma 1. If S(7,t) has an envelope rates(f) < oo, for bound decreases with increasimgHowever, the decrease in
every e > 0, there existsos(f) < oo such thatS(r,t) is d converges in all HARQ protocols. This is due to the fixed
(c5(0), ps(0) — €)-upper constrained]5). transmission slot lengthl. It is worth mentioning that when
Proof: See AppendixB. the delay is the main concern, expending transmission gnerg
As seen in Fig[l8 and Fid.] 9, we plot the delay boundbove some value is useless, and that when there is enough

b=os(0)
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dB.

energy prov_|ded for dat"?‘ transmission, emplqylng a sinelii components of which are the moment generating functions of
technology is more profitable for system designers. As fer tl?he processes i/ states. The rates (number of bits leaving
delay performance regarding the_ variatiqns ?n data arriwtgls the queue) supported b)} the above channel model with the
at the buffer, we ploti as a functlo_n ot in F'g'm and Fig. state transition model described in the previous section ca
13 When'y =5dB af‘d 10 dB Wh”e_ n = 155 b'tEISSIOt and be seen as a Markov modulated process and hence the setup
252 bits/slot, respectively. We agan noté = 1077 In all onsidered in[[24] can be applied immediately into our sgtti
protocols and cases, when the arrival rate is greater than %e haven bits served from the queue in State 0 while
average service rate, the delay threshold goes to infirigesi e have O bit served in other states. Therefore we have
the system is not stable any more. The performance of HAR (6) = diag{e=", 1, ..., 1}. Then, we ha\;e '

T1 is noticeably degraded with increasingvhen compared T '

to other HARQ protocols. However, a system furnished with (I—po)e ™ 1—p l=—pm-—2 1
HARQ-T1 is more appreciated when arrival rates are lower. poe ! 0 i 0 0
T _ O D1 N O O ) (9)

IV. CONCLUSION

In this paper, we have considered HARQ systems under : : ' ' :
) . . 0 0 e PM—2 0
QoS constraints such as asymptotic and non-asymptotig dela . . _ - _
and backlog bounds. We have addressed a practical settin/fe thatY in @) is a non-negative matrix, i.€X, > 0, with
which data packet transmission under a transmission aeadigach element greater or equal to zero, ig;, > 0, where
is performed. We have initially established a state-ttarsi Y = [vij]. [29, Chap. 8, Corollary 8.3.3] states thafif> 0,

model to define the queueing characteristics of the systefn= [7o, - ,Znm-1] > 0, andx # 0 then
then we have identified the steady-state probability ofrolga | M=
the queue at the transmitter and the packet-loss prohadtlit sp(Y) =max min — Z VT
the receiver. We have further derived the effective capaliit gg OsisM=12; =5
features the arrival rate at the transmitter queue under QoS M—2
constraints. We have then furnished the analysis with the no = ax mm{ (1— po)e_ng n Tyt (- pi)xi’
asymptotic delay and backlog bounds with respect to a given ;558 0
violation probability. We have finally presented the nuroaki
results comparing three different HARQ protocols. poe ™00 5 B L gy T2 H , (10)
€ T2 TM—1
APPENDIX ) o
Now, let us assume that the maximum of the minimuni_in (10)
A. Proof of Theorem([] is obtained whenever
In [24, Chap. 7, Example 7.2.7], it is shown for Markov  _, 920  x1 TM—2
modulated processes that boe g TRy T T M a1
M—2
8O _ Liogsp(Po(o)) =+ logsp(T} = (1 po)e? 4 ML 2y L polti
0 0 0 Zo
where sgT} is the spectral radius of the matri¥, P Note that whenever; for i = 0,--- ,M — 1 changes, the

is the transition matrix of the underlying Markov processninimum in [Z0) will decrease, but it will not be the maximum
and ¢(0) = diag{¢o(0), ..., ors—1(0)} is a diagonal matrix, of the minimum values. Therefore, (80) will be obtained
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whenever[(Il1) is provided. Holding the equality [n](11), wels]
have 6]

2 = PPz P (_) fori=2.-.M-1.  (12)
Py e(lfz)ne g 7]
Zo

Then, definingy = 2, and insertingy and [12) into the
equality in [I1), we have $ff') = poe "%y and

M—2
1—po (1
y=—"2+

PM—2 D1 1
péwflef(Mfl)nG yM-1"

(8]

—p)pi1 -1 1
pi)p—mle = it [
pOe y (13)

- [20]
Reordering[(IB), we obtain the expressjty) in (). In order

to analyze the roots of(y), we invoke the following theorem: (11]

— no_

Theorem 2 (Cauchy’'s Theorem): Let g(z)
bz~ — ... —b,, where all the numbers are non-negative
and at least one of them is non-zero. The polynomia) has
a unique positive roat* and the absolute values of the othel3]
roots do not exceed* [30].

Note that f(y) has coefficients that are non-negative ang4]
at least one of them is non-zero. Therefore, there is only one
unique real positive root of (y), denoted byy*, which gives [15]
the spectral radius of.

[12]

B. Proof of Lemma[l (16]

We can note from[{2) that for every > 0, there exists

to < oo such that 7]
1
7 5up log Ee %57+ < 1(—pg(0) + ¢) (18]
7>0
<to(—ps(0) +¢€) (14) [19]
whent > to. Meanwhile, for allt < ¢, we can write
1 —0S(7,7+t) [20]
—suplog Fe T Q.
0 >0
[21]
Let 05(0) = to(ps(f) — €) such that fort < ¢y
[22]
~suplog Ee 957 < 0 < t(—ps(6) + €) + 05(0). (15)

0 72>0
From [14) and[(I5), we can easily see th#tr, 7 + t) is
(o5(0), ps(8) — €)-upper constrained, i.e., for &l < ¢

suplog Ee 57 < —0[t(ps(0) — €) — 05(6)]
>0

(23]

[24]
[25]
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