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Abstract—We consider the problem of serving multicast flows Prabhakaret al. [9] studied the tradeoff between throughput
in a crossbar switch. We show that linear network coding acres and complexity of two heuristic algorithms, under a faisies
packets of a flow can sustain traffic patterns that cannot be constraint. The hardness of the multicast scheduling probl

served if network coding were not allowed. Thus, network cothg
leads to a larger rate region in a multicast crossbar switchWe was proved by Andrewst al. [10]. They also showed the

demonstrate a traffic pattern which requires a switch speedp hardness of the problem of integrating unicasts along vai¢h t
if coding is not allowed, whereas, with coding the speedup multicasts.
requirement is eliminated completely. In addition to throughput Marsanet al. [11] gave a characterization of the rate region

benef!ts, coding snmpllfles_ the charactgrlz_atlon of the rateegion. achievable in a multicast switch with fanout splitt?r,lgand
We give a graph-theoretic characterization of the rate regbn

with fanout splitting and intra-flow coding, in terms of the &is0 defined the optimal scheduling policy. Interestingiys
stable set polytope of the “enhanced conflict graph” of the Work proved that unlike in the unicast cad@0% throughput
traffic pattern. Such a formulation is not known in the case cannot be achieved for multicast flows in an input-queued
of fanout splitting without coding. We show that computing  switch. In fact, the minimum speedup needed to achl®o&;

thg offline schedule {.e. using priqr knowledge.of the flow throughput grows unboundedly with the switch size
arrival rates) can be reduced to certain graph coloring prodems. '

Finally, we propose online algorithms ¢.e. using only the current Our paper studies the same problem as [11], with the
queue occupancy information) for multicast scheduling basd on  following modification. The inputs are allowed to send linea
our graph-theoretic formulation. In particular, we show that a combinations of cells waiting in the queuesg., they are
maximum weighted stable set algorithm stabilizes the quesefor  zjjowed to perform linear network coding. We show that this
all rates within the rate region. modification enables a number of interesting and non-trivia
benefits as well as insight. The main contributions of thisqra
. INTRODUCTION are:

The input-queued crossbar switch has been studied well1) We prove that linear network coding increases the
especially in the context of unicast traffic. It is known that achievable rate region of the switch.
100% throughput can be achieved [1], in the sense that as2) We provide a simple graph-theoretic characterization of
long as no input or output is over-subscribed, traffic can be  the rate region with coding, which in turn leads to more
supported without causing the queues to grow unboundedly. insight on the problem.
This is accomplished by the maximum weighted bipartite 3) We provide offline and online algorithms to achieve this
matching algorithm, with queue lengths as weights. Several rate region while stabilizing the queues.
simplifications of this qlgorithm have also bgen investgat oot ance [12] gave one example to show the benefit of
(12], [3], [4]). If the arrival rates are known in advance (Ornetwork coding in a multicast switch, which we will revisit

?f they are e;ti_mated in real time), we can use the €aPafi- sectiond. The paper also gave an outer bound on the

|ty_decomp03|t|on approach of the_ Birkhoff-von Neuman te region with fanout splitting and intra-flow coding. hig

switch [5], [6]. Reference [7] contains a good summary aper, we prove that this bound is indeed achievable.

the unicast switching literature. . . e
The extension of the problem to multicast flows is intrinsi: In the special case when fanout splitting is not allowed

" difficult. Earl h d th trat for any flow, [13] showed that the rate region is the stable
cally more diicut. arly approaches use € copy sthated polytope of a suitably defined “conflict graph”. A similar

— make copies of the cellsin a separate stage before the h-th ic f lati d by C isal
switching fabric, and then treat them like unicast flows [8 fap _t. eoretic formu atlon_ was used by aramagtisal.
' h [14] in the context of unicast traffic in Banyan networks.

However, this approach reduced the bandwidth available 2ferences [13] and [15] showed that, if the flow rates are

other traffic in the switch. It became clear that tingrinsic . -
. - o ) - known in advance, then a rate decomposition based approach
multicast capability of the switching fabric must be utilized. : e
can be used to compute the schedule, in a manner similar

Ipackets arriving at the switch are split into fixed-size simialled cells
which are reassembled into packets at the output. SFanout splitting is the ability to serve partially, a mudtit cell to only a
2The ability to transfer simultaneously, a cell to multipletputs using subset of its destined outputs, and complete the servicelisesjuent time-
simultaneous switching paths slots.
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to the Birkhoff-von Neumann unicast switch [5]. They also
showed that such rate decomposition reduces to fractional
weighted coloring of the conflict graph. In this paper, we

extend these graph-theoretic connections and insighteeo t - 2/3 5
case when fanout splitting and coding are both allowed. 9 AT s
Note that, for the case of fanout splitting without cod- X g /3
ing, [11] gave a characterization of the rate region as the \\ P
convex hull of certain modified departure vectors. However, N
a graph-theoretic formulation of the same is not known. On e \\ l//f/—\l\/f
the other hand, for the case with coding, our graph-theoreti s v{/; 23

formulation helps us understand the effect of the traffitgoat

on the throughput. We transform any given traffic pattero int

a conflict graph, and the properties of this graph can be used
to derive insight on what kind of traffic patterns are “hard” i Fig. 1. The example traffic pattern showing the benefit of netvcoding,
terms of computing the schedule, and in terms of achievififf"9 With its enhanced conflict graph

100% throughput.

Time-Slot Code Outputs
The rest of the paper is organized as follows. Secibn I 1 2] 12
gives an example of a traffic pattern that cannot be achieved 2 Py 2,3
with fanout splitting alone, but can be achieved when networ 3 P& P 31
coding is allowed. Sectiofdll introduces the concept of-“en TABLE |
hanced conflict graph” and gives a graph-theoretic fornat THE NETWORK CODE USED BY INPUTL

of the problem. It also states our main theorems on the rate
region and the computation of an offline schedule using a rate
decomp(_)smon based_ approach. Se_n v uses the_se thsorﬁeld is sufficient. The network code involves coding at input
to quantify the benefits due to coding, in two situations — thle over packets onlv from the multicast flow. Inout 1 codes
2 x 3 switch, and the x N switch, with a traffic pattern that "’ P y - P

generalizes the example of Sect@h II. In the latter case, over blocks of 2 packets, and sends them over 3 time-slots.

prove that a speedup of around 1.5 is needed without codi onsider a block of two packe{s, P} from the multicast

. L . Tablell gives the code and also specifies to which outputs
as opposed to no speedqp '.f codmg 1S allqwed. Semn&ge coded packet is sent. Thesign indicates that the packets
addresses the problem of finding online algorithms for ogtim

scheduling of a multicast switch, when fanout splitting an re XORed bitwise and sent. It can be verified that this code

coding are allowed. We propose a maximum weighted stahﬁgables each of the three destinations to decode both gacket

set algorithm and show that it is optimal. Finally, in Secfidl in'the block, at.the end of 3 time-sots. : .
. o . . As for the unicast flows, they are also served in these time-
we summarize the contributions of this paper, and discu

potential avenues for future work ssl‘?)ts,_in pa_rallel. Note that, input 1 talks to o_nly 2 outpats
' any given time (column 3 of the table). Thus, input 2 can send
a unicast packet to the third unoccupied output and a rage of
Il. NETWORK CODING IMPROVESTHROUGHPUT— AN is achieved for each of the unicasts. In other words, thengive
EXAMPLE code satisfies all the rate requirements of the example.

Consider the traffic patter shown in Fig.[OL. This is a
2 x 3 switch, with 4 flow$ — one multicast flow from input 1 I1l. THE RATE REGION
to all 3 outputs, and 3 unicast flows from input 2 to outputs 1

2 and 3 respectively. The rates of the 4 flows are set, df,
% and% respectively (normalized with respect to the arriv

rates).

' In this section, we present our main theorem which uses a
%aph—theoretic formulation to characterize the ratemegyith
nout splitting and coding. We begin with some definitions

_ ] ] ) .. and a note on the queuing assumptions in the switch.
This traffic pattern cannot be achieved with fanout Spitin - pefinition 1 Elow): A flow is a stream of packets that have
To show this, we note that at all times in the schedule, ong,

common source and destination set. It is represented by a 2-

of the unigasts.from input 2_ has t_o be served, singe it ist@ple (4, J) consisting of the input and a subsef of outputs
saturated inputi(e. the total inflow is 1). Therefore, in any .,responding to the destination set of the multicast sirea
time-slot, one output is blocked and a multicast packet @an, pefinition 2 Gub-flow: A sub-flow is a 3-tuple(i, J, j)

best, be sent to the other 2 outputs. This means, it will mke(ﬁ‘)nsisting of an input, a subset of outputg and one output
least 2 slots to complete the service of each packet, andhencom that seti.e. j e J.

a rate of more thaé is not achievable. Since the required raté 5 ¢,p_flow (i,J,) is said to belong to the flowi, .J). A

ars L / : ;
is 3, fanout splitting cannot achieve this traffic pattern. o ticast flow can be thought to consist of several sub-flows,
However, it can be served if intra-flow network coding and ., going to a different outpuit.

fanout splitting are allowed. In fact, a code over the bina%ueuing assumptionsThe inputs are assumed to have a

4The formal definition of a flow, and the switch assumptions given in separate buffer for every flow. The buﬁers are_nOt resmi.Ct_e
Section[TIl. to be FIFO. In fact, we assume that, in any time-slot, it is



possible to compute a linear combination of all packetsiwithflows without causing the queues to build up indefinitely with
a buffer and send it out. However, there is no coding acrosse.
contents of different buffers. The usual switch constsaare Theorem 1: The rate region with fanout splitting and intra-
assumed to hold — an input may not send different packetsfimw linear network coding, denotdd, is given by the set of
different outputs simultaneously, and an output may receiall rate vectorsr such that, the enhanced rate vectdr) is
a packet from only one input at a time. For the case whémthe stable set polytope of the enhanced conflict graph.
coding is not allowed, we assume the multicast virtual outpu  Proof:
queue architecture with re-enqueuing, as described in [11] Achievability: Supposee(r) is in the stable set polytope
Since fanout splitting is allowed, sub-flows belonging te thof the enhanced conflict graph, then we can express
same flow do not conflict with each other, in the sense that aay a convex combination of the incidence vectors of stable
subset of them may be served simultaneously. Owing to thets of the graph. Assuming the coefficients of the convex
switch constraints, an input cannot send different infdioma combination to be rational numbers, we can construct a
to different outputs at the same time. Moreover, we do n&fame-based schedule by appropriate time-sharing amang th
allow coding across packets of different flows. Hence, at awjfferent switch configurations represented by the staéts. s
point of time, sub-flows belonging to different flows may notn each time-slot, the stable set specifies which sub-flows ar
be served together. Therefore, any sub-flow conflicts witlt suto be served. Let the length of such a frameme
flows of other flows at the same input. It also conflicts with This schedule has the property that every input is connected
sub-flows from other inputs, that are destined to its outpub every output for enough fraction of time, so as to satisfy
These conflicts are captured by the enhanced conflict grapthe demand of each sub-flow between them. More specifically,
Definition 3 Enhanced Conflict Graph: Given a traffic consider one particular floy of rater. Assumery is rational

pattern, the enhanced conflict gragh = (V,E) is an andF is large enough so that F’ is integer and F' packets
undirected graph defined as follows: are served in one frame. Then, the schedule guarantees that

Vertices The graph contains one vertex for every sub-floguring the course of the frame, each output in the fanout of
of every flow. flow f receivesrgF' transmissions from the input.

Edges Each sub-flowis connected to all sub-flows belong- Thus, to prove achievability, we only need to ensure that
ing to other flows at the same input. In addition, each sub-flowne of the transmission opportunities is wasted. In every
is also connected to all sub-flows that have the same outptitne-slot, each transmitted packet must be innovative ko al

The above definition implies that the set of sub-flows th#ieé outputs it reaches. It is possible that there is no single
are served simultaneously in any valid configuration of thgacket that will be innovative to all the connected outputs.
switch, must be a stable set in the enhanced conflict grapH-or instance, each of the outputs may have all but one packet

Definition 4 Enhanced Rate Vectdr Let r € R/ be the from a common set, and the missing packet may be different
rate vector of a traffic pattern that hgsflows. Suppose the for each output. This is where network coding is required. A
total number of sub-flows in the patterne, the sum of all coded packet can simultaneously satisfy all the outputach s
the fanout sizes) is. The enhanced rate vecte(r) € R® a situation.

corresponding tar is defined as: We use a maximum distance separable (MDS) code [16] to
eqig5) () =1, forall j e J. prove the achievability. LeT” be the total number of slots in

We use the enhanced rate vector as weights for vertices of it frame, in which flowf is served to any of its outputs.

enhanced conflict graph. Owing to fanout splitting;,I" is in general more thany F'. In

For example, FigZ]1 also shows the enhanced conflict graph B¢ coding scheme we propose, the input usgs a, ') MDS

the traffic pattern on the left. Note that, the weight asgedia code and computes the codeword treating h€' packets

with the sub-flows of a particular multicast flow are all equa¥s symbols of the information word. Then, at each of The

to the rate of that flow. transmission opportunities for floy, the input transmits a
Definition 5 (nnovative Packet A packet transmitted NewW symbol from the MDS codeword that it computed.

from an input to an output is said to beovativeif it conveys ~ The key property of an MDS code that we use here is that

previously unknown information to an output. For linea®n (7, k) MDS code can correct upto: — k) erasures, each

network coding, this means that the vector of coefficienf Which may occur in any position of the codeword. Hence,

used in the linear combination while computing the packe#Sing any set of; codeword symbols one can retrieve all the

is linearly independent of coefficient vectors of all paskefnformation. In our case, since each output in the fanoyt isf
received previously by the output. guaranteed to receive F' codeword symbols, it can retrieve

the entire transmitted information. (Note: The scheduld an
] ) o ] _ the code are computed offline, and are known to all inputs
A. The rate region with fanout splitting and intra-flow codin 5ng outputs.)
By the term rate region, we mean the set of average arrivanverse: The proof of the converse was given in [12], and
rate vectors for which there exists a schedule that senaes th summarized here for completeness. Léke any achievable
. _ _ S rate vector. Lete(r) be the corresponding enhanced rate
__The term "enhanced conflict graph” is used to distinguishaitrf the term v actor, Sincer is achievable, there is a schedule of switch
conflict graph” that was used in [13], for the case of no-fatasplitting. . . . . .
8In the rest of this definition, by sub-flow, we mean the verpresenting conflguratlons and associated codes for each time-slotein th
this sub-flow. schedule such that, every sub-flow receives innovativegiack



for enough fraction of time so as to meet its rate requireme®. Admissible region vs. rate region
Based on this achieving schedule, form a 0-1 indicator vecto g, 5 general graph, a complete characterization of the

in each time-slot, with one entry for each sub-flow such thayispe set polytope in terms of linear inequalities is umkmo

this vector has a 1 for those sub-flows for which an innovative,,eral families of necessary conditions are known. One
packet is conveyed by the code in that time-slot. Te@)is  gyample is the clique inequalities, which say that the total

the time average of such indicator vectors over all the timﬁ/'eight on the vertices of a maximal cliquenust not exceed

slots. But then, each indicator vector has to be the incilent |, terms of the switch. we can show that the maximal
vector of some stable set of the enhanced conflict graph qygy es of the enhanced conflict graph correspond to flows
to the switch constraints. Thus, any achievable enhanded rgiher from the same input or to the same output. Thus, the

vector can be expressgd as a convex cc_>mbination of stakle Eﬁ&ue inequalities imply that no input nor any output may
of the enhanced conflict graph, and this proves the convergg.qyerioaded. This is also called tagmissibility conditions

" The polytope described by these conditions along with non-

Since we view the packets as elements of a finite field whigativity constraints is called tredmissible region
computing the code, the field size required for the code is alt is known that the non-negativity and clique inequalities
parameter of interest. If the field is too large, then we mégpffice in describing the polytope, if and only if, the gragh i
need more than one packet to represent a single field elemé@sffect [19]. This leads to the following corollary.
which makes the implementation more difficult. On the other Corollary 1: For a given traffic pattern, the entire admis-
hand, in order to ensure that every transmission leads to sible region is achievable with fanout splitting and infiaw
innovative packet being conveyed to all the recipients, westm linear network coding, if and only if the enhanced conflict
operate over a large enough field. The following discussigtiaph is perfect.
indicates that for reasonable assumptions on the switeh sizIn a more general case, the admissible region is a strict
and the packet size, the field size required will be such thasaperset of the rate region. This implies that it is not gaesi
field element will indeed fit within one packet. to achieve 100% throughput even with fanout splitting and
coding. The formulation presented here gives us insight on

i What kind of traffic patterns will lead to a reduced througtpu
In general, for ar(n, k) MDS code to exist, we need to work

| field si blerio Thi the field Note that, for the case with fanout splitting, but no network
Over a farge Tield size, comparableso This means the Tie coding, Marsaret al. showed in [11] that 100% throughput

size could depend on the length of the schedule, which is hnot be achieved. However, in that case, the rate region is

The proof above uses an MDS code to show achievabili

ich do not have a neat graph-theoretic characterization

general. Thus, allowing network coding leads to a more

insightful description of the rate region, and enables the u
Proposition 3.1: A field size equal to the fanout size i&f graph-theoretic tools.

sufficient to ensure that every transmission is innovatoe t

all outputs, in the proof of Theorefh 1.

a field as big as only the fanout size of the flows, while stih
ensuring that every transmission is useful to all recigent

C. Rate decomposition approach to compute the schedule

Proof: We use the same notation as in the earlier proof. | this subsection, we address the problem of the Birkhoff-
Consider a network with three layers of nodes. The firghn Neumann like rate decomposition approach for offline
layer has a single node — the source. The second layer nogggputation of the schedule, given the rates of the flows, in a
correspond to the time-slots in the frame in which figwis  manner similar to [5] and [6]. The following corollary gives
being served. Thus, there &fesuch nodes. In the third layer, 5 graph-theoretic interpretation of this approach.
there is one node corresponding to each output in the farfout opefinition 6 Eractional Weighted Coloring Probler
flow f. The source node is connected to all nodes in the secqgflen a graphG and a weightw, € R* for each vertex,
layer. A node in the second layer is connected to those nogg$imize Zfﬂ \; (\ € R*, Vi) such that there
of the third layer which are served in the corresponding img i< stable sets_Si} of G with Zf—l xS = w, wherew is

slot. All links have unit capacity. Consider the single SBT e given weight vector, ang® denotes the incidence vector
multicast problem with network coding, from the source nodg ihe stable seS. The optimum value of the minimization

to all nodes of the third layer. Since the schedule guaraniegiem is called théractional weighted chromatic number
that every output receives)I” transmissions, this means the \ye interpret the weights to correspond to the flow rates, and
min-cut of this network isro . Therefore, using the resultsy,q ¢ efficientsy; to be the fractions of time in the schedule.
of .[17] and [18]'TOE packets can l_)e tra.nsm|ttedl to e‘,”‘Ch OUtIOII‘étssentially, if the fractional weighted chromatic numiseleiss
using network codlqg, {:md the T'em_ size requwe_d IS qual {Ran 1, then the optimal solution expresses the weight vecto
the number of destinations, ,Wh'Ch In our case IS the size Qé a convex combination of stable sets, which in turn leads to
the fanout. The network coding solution to this new network ¢ i:-h schedule. This leads to the following corollary.
naturally leads to the code for the switch, namely that, in Corollary 2: The problem of computing the offline switch

th i - i i i . . . -
the time slot, the switch input Sh_OUId use the same linegfp ey e for a multicast traffic pattern when fanout spigti
combination that the source transmitted to tHenode of the

second layer in the network. [ ] A clique is a set of vertices all of which are connected to eaitter.



and intra-flow linear network coding are allowed, is equimatl Polytope Volume \N/é)anr:]a;'zed asfﬁisg% ., 0
. . . adm

to the problem of fractional weighted coloring of the enheshc Poam 1921 x10-9 [ 1 1
conflict graph, with the enhanced rate vector used as vertex | Pintra | 4.686 x 10*2 0.952 1.25

i P 4.613 x 1079 | 0.937 1.25
weights. fs

g . . . Prots 2.260 x 109 | 0.460 1.67

Given the set of rates of the various flows in a multicast TABLE I

switch, the switch schedule can be obtained as above. This
ensures that each input gets to talk to each output for enough
fraction time about each flow. To make sure that every
transmission opportunity is used to convey a new degree pf 5 . 3 switch
freedom, we need to use an appropriate code. One way to do
this is the MDS code idea described in the proof of Thediem 1.In a 2 x 3 switch, there are 14 possible flows - three
Alternatively, to obtain a code using a smaller field sizeg orunicasts, three two-casts, and one broadcast from eachoof tw
can use the ideas in Proposit[anl3.1, where a multicast metwéputs. Thus, the rate region is a 14-dimensional polytope.
code construction is used on a new network that represemts e numerically computed the facets of the stable set podytop
transmission schedule. The switch schedule and the netwofkthe enhanced conflict graph corresponding to this traffic
code which ensures that every transmission conveys an pattern. Then, we used this to obtain and study the ratemegio
novative packet, together give a complete specification ofohthe 2 x 3 switch.
frame-based scheme that achieves the entire rate region.  The methodology we used was to first list out all stable sets
of the enhanced conflict graph. These are the extreme points
of the rate region. We used a package for MATLAB known
D. The effect of speedup as the multi-parametric toolbox [20] to convert the extreme
o o ) point representation to a representation using linearuakq
Definition 7 (Speedup)A switch is said to have a speeduRjes, which was then used for the speedup computations. To
s if the switching fabric can transfer packets at a ratémes compute the volume of the polytopes, we also used a software
the incoming and outgoing line rate of the switch. known as Vinci [21]. The rate region of the case with fanout
If we define a time-slot to be the reciprocal of the lingplitting but no coding was obtained using the charactticina
rate, then this means the switching fabric can go throsighgiven in [11].
configurations within one time-slot. Note that this regsire The two rate regions were compared in terms of the volume
output queuing. of the polytope and the minimum speedup needed to achieve
So far we have considered the case wherel. It is easy the entire admissible region. The results are summarized in
to see that a rate vectar is achievable with speedup if Table[TV=A. Here, P, ,, refers to the admissible regioR i q
and only if it is admissible andr is within the rate region refers to the rate region with linear intra-flow network augli
corresponding to a speedup of 1. and fanout splittingP;, is the case with only fanout splitting,
Now, if the fractional weighted chromatic numbefdefined and P, is the rate region when fanout splitting is not
above) for a given rate vector exceeds 1, then such a ratlwed. The corresponding values for the case with no fanou
vector cannot be achieved, since it is not within the stab#gplitting, are also shown. These results were obtainedubis
set polytope. However, if we allow a speedup equalcto graph-theoretic formulation that was obtained in [13] ab%] [
then the rate can be achieved. This is because the speeduphe results indicate that there is a marginal improvement in
essentially scales down the rate vector by a factoe,cnd throughput due to coding. There is another way to compare the
this in turn scales down the optimum value of the minimizatioowo schemes. We know that network coding enlarges the rate
by the same factor. Hence, the new rate vector is inside tgjion. The same region can also be achieved without coding,
rate region. This gives an interesting physical intergi@ta if we allowed a speedup. The amount of speedup needed for
for the fractional weighted chromatic number correspogdinhis to happen is a measure of the gain due to coding. This
to a given rate vector, which is summarized in the followingalue is 1.1667 for th& x 3 case. Thus, for certain traffic
theorem. patterns, coding can do away with the need for speedup, even
Theorem 2: The minimum speedup needed to achievénan 2 x 3 switch.
given rate vector with fanout splitting and coding, is the
fractional weighted chromatic number of the enhanced azinfli
graph, with the enhanced rate vector used as vertex weighs. Example in & x N switch

A COMPARISON OF THE FOUR SCHEMES

We now study a special traffic pattern in2ax N switch,
IV. EXAMPLES AND SIMULATION where the benefit of network coding is pronounced. Consider
a2 x N switch, with the following traffic pattern: at input 1,
Network coding gives a benefit in the rate region, even there is one broadcast flow going to all outputs, having a rate
we use only linear intra-flow coding. In this section, we gpplro; at input 2, there aréV unicasts, one to each output — the
the formulation described in the previous section, to gfiant rate of the unicast going to outpgis r;, for j = 1,2,..., N.
the benefits in & x 3 switch with arbitrary traffic, and in a See Fig[P.
2 x N switch, for a special traffic pattern. The rate region of this pattern with fanout splitting but no



g The two examples show that the throughput benefit due
to coding depends on the traffic pattern in the switch. For

2 ry instance, in th& x 3 case, for some traffic patterns, both fanout
el ry splitting and coding are equally far away from the admidigjbi
r, limit, which is why both need the same speedup of 1.25 to
cover the entire admissible region. However, for some other
Fa traffic patterns, coding needs no speedup, while fanotitisgli

may need a non-trivial speedup.

We expect that the gains observed will be more pronounced
in larger switches, as the number of traffic patterns where
coding gives a benefit will be more. However, there will still

PN be patterns for which there is no gain due to coding. The more
important gain of coding is the simpler characterizationhef
Fig. 2. A special traffic pattern which demonstrates the fienécoding rate region and the insight gained from the graph-theoretic

) formulation.
coding, can be shown to be:
rm > 0 fori=1,2,...N (1) V- MAXIMUM WEIGHTED STABLE SET ALGORITHM FOR
N ONLINE SCHEDULING
Zm < 1 (2) Suppose the rates of the various flows are unknown, and
i=1 ‘ scheduling has to be done online, using only the queue
ro+r;, < 1 fori=1,2,...N (3)  occupancy information. Analogous to the maximum weighted

N matching algorithm for unicast, we show that a maximum

2ro + Zm < 2 (4) weighted stable set algorithm on the enhanced conflict graph
=1

achieves the entire rate region for multicast when fanolitt sp

It is easy to verify that these are necessary conditions.!iftg is allowed along with network coding. In this sectiorg w
turns out that they are sufficient as well, but we skip the progssume that the arrivals to each flow arel. and independent
of this fact for want of space. across flows.

Now, consider the enhanced conflict graph for this pattern. Lémma 1. Lef)’ be a vector space with dimensianover

Theorem 3: The enhanced conflict graph for the specidjfield of sizeg, and letVy, Vs, ...V, be subspaces of, of
pattern is a perfect graph. dimensionsuy, no, . .., ng respectively. Suppose that> n;

Proof: It consists of a set oV sub-flows one for each forall i =1,2,...,k. Then, there exists a vector that is¥h

unicast, and another set o¥ sub-flows for the broadcast,PUtiS notin any of tha’s, if g > k. o
The unicast sub-flows form a clique, while the broadcast sub- Proof: The total number of vectors iV is ¢". The

flows form a stable set. Thus, the set of vertices can BEMber of vectors I; Is ¢". Hence, the number of vectors
iti - ich i : in UF_,V; is at mosty_._, ¢™i. Now
partitioned into two parts, which induce a clique and a stabl =171 i=19 - ’

K2

set respectively. This means the graph is a “split graphfcivh k
is known to be perfect [19]. [ ] qu < kglmaer < kg < "
The next corollary follows immediately from Sectibn1ll-B. i=1

. . _ where,n,q. IS max; n;, which is at mostn — 1).
Corollary 3: For the special traffic pattern, the entire ad- Thus, there are more vectors ¥nthan in the union of all

missible region is achievable if fanout splitting and lineathe V;’s. This completes the proof. [

intra-flow coding are allowed. We introduce variables of the form; s, (t), for every sub-
This means that the following rate vector is achievahle=  flow (i, J, j) in every time-slot, such thatx;; (t) represents

(1—-%); r; =+ forall otherj. the difference between the total number of packets of flow

This fact can be verified by observing that the traffic patter, J) that have arrived until timef, and the number of
is a generalization of the example given in Seclidn Il, arad,th innovative packets transmitted from inputo outputj, for
the same single parity check code can be generalizédids, flow (i, /) until time ¢. Thus, z;;;(¢) is a measure of the
and used here, to achieve the traffic pattern. backlog for sub-flow(i,.J,5) in terms of the degrees of
But, this rate vector does not lie within the rate regiofreedom.
for fanout splitting without coding because it violates the Theorem 4: The maximum weighted stable set (MWSS)
inequality given in Eqn[4. The left hand side evaluates tgorithm given above stabilizes the vectorin the mean,
(3 — %) while the right hand side is only 2. Hence, therovided the rate vector is inside (the rate region given in
smallest scaling factor such that the scaled rate vectsr lieheorenf]l).
inside the rate region i$1.5 — %) In other words, we have Proof: First we need to show that the second step in the
demonstrated a traffic pattern which can be served with nmaximum weight stable set algorithm is feasible. Nawy;
speedup if network coding is allowed, but needs a speedupgifes the difference in the number of dimensions that thatinp

(1.5 — &), if coding is not allowed. knows and the number of dimensions that outputnows.



Algorithm: Max Weighted Stable Set (MWSS)

1. Usingz;;;(t) as the weight for the vertex corresponding to the
sub-flow (2, J, j), compute the maximum weighted stable set in ARRIVALS
the enhanced conflict graph. This specifies the set of sulsflow ' Batch1 | Batch2 | Bach3 | Batch4 | Batch5
that will be served in the current time-slot. 4f; ;; is O for any | | | | | |
sub-flow, it is dropped from the stable set. T T \ \ \ \
2. For every flow in the chosen set, compute a linear comloinaif g % 2 g 4 4
all packets received for that flow until time such that, the linear

combination is an innovative packet for all the chosen otstud
that flow. i | Batch 1 Batch 2 Batch 3

SERVICE

3. Transfer the computed linear combination to the outpé@itthe
sub-flows chosen in the stable set in step 1, and updaig(t) : ;
accordingly. Go back to step 1. ' WSS P

I T T I T

A oA T, A T, oA

Hence, ifz;;; is positive for a set of outputs, then Lemida 1
guarantees that there exists a linear combination of thkepsc
of flow (i, J) that is innovative to all those outputs, for a fielc':ig. 3. Atypical instance of the batching process in thedihibrizon MWSS
size that is larger than the number of outputs involved. Suelgorithm
a combination is chosen in step 2. The network code thus
ensures that every transmission opportunity is used toegonv
a new degree of freedom. then take a break to clear the backlog for that batch. After
The rest of the proof is essentially an application of th#hat, the batch is flushed out of the buffers, and the algwrith
results of [22] and [23] for the case of parallel queues. Thiegins afresh with the next batch. Note that these breaks wil
sub-flows can be viewed adrtual queuesArrivals to a sub- cause a loss in throughput, since the MWSS algorithm is now
flow “queue” are defined to occur whenever an arrival occurgnning for only a fraction of the time. However, by choosing
to the corresponding flow in the switch. A departure from th& large enough batch length, this throughput loss can be made
queue is defined to occur when a new degree of freedomaibitrarily small. The algorithm is described in more detai
conveyed for the sub-flow. Eligible activation vectors oé thhelow.
gueues therefore correspond to conflict-free sets of swsflo  The batch length is denotetl,, and all arrivals from time
or in other words, stable sets in the enhanced conflict grapha, + 1 to (k+1)A, are said to belong to batdh for k =
Under these definitions, the only difference between this1 2 ... The processing of a batch begins only after it has
situation and the situation assumed in [22] is that the alsiv fylly arrived. Each batch is processed as follows. For a &am
to different queues are assumed to be independent of ea¢h\ (< A,) time-slots, the MWSS algorithm is allowed to
other in [22], whereas in our case, arrivals to sub-flows @fin on packets of the current batch. In order to exactly mimic
the same flow always occur simultaneously. However, thise MWSS algorithm, we impose the constraint that, at the
lack of independence across arrival processes does net affe’ gjot of the MWSS frame, the weights and coded packets
the results of [22], essentially because of the linearity @fre computed using only those arrivals that occurred before
expectation of dependent random variables. Stability i tRlot number4ek in the batch, even though the entire batch
mean still holds, as long as other assumptions such as {f€available. This is because the original MWSS algorithm
ergodicity of the arrival processes and the finiteness af theuns in an online manner, without using future arrivals.sThi
second moment hold. Thus, the maximum weighted stable ggétriction allows us to use the stability result of Theo@m
algorithm stabilizes the occupancy of the virtual queuss, for the finite horizon case. It is expected that using therenti
long as their arrival rates are inside the convex hull of thgatch at every step will only improve the performance.
eligible activation vectors,e. the stable set polytope. At the end of the frame, the switch clears out the existing
But then, the above definitions of arrival and departuigackiog in the degrees of freedom of the current batch, by
from the virtual queues imply that the occupancy of queugnding enough number of innovative packets to each of the
(i,J,j) at any time-slot is precisely;;(t). Thus, this proves gyp-flows one by one. The duration of this backlog clearance
that thex vector is stabilized in the mean, as long as thﬁeriod depends on the amount of backlog that the MWSS
arrival rate vector is withif". Thus, for all choices ofi, J, j), algorithm leaves behind. We denote this durationZhyfor

limy 00 Elzig;(t)] < oo. B the k" batch. Thus, whatever arrives in a tin is cleared
within a time of (A + Ty).
Finite Horizon MWSS Algorithm Once the backlog of thé!" batch is cleared, all packets

The above theorem shows, that in terms of the number @ff that batch are flushed out and a new frame begins, during
degrees of freedom, the MWSS algorithm ensures stabilityhich the next batch is processed. Before starting the new
However, the algorithm has no provision for packets to depdrame, the algorithm waits for thék + 1) batch to arrive
from the buffer, since all packets that have arrived untileit  completely at the switch. If there is no fully arrived batch
can potentially be used for coding at tiraeTo show that the waiting at the switch, and all previous batches have been
buffers can also be stabilized, we modify the algorithm inteerved, the system is said to be in @ite state All other
a batching scheme, which we call tfi@ite horizon MWSS times are calledusy stateA typical instance of the batching
algorithm Packets are grouped into batches according to thgliocess is shown in Fifl 3.
arrival times. The basic idea is to run MWSS on one batch, Theorem 5: If the arrival rate vector is strictly inside,



then there exist choices @k and A, for which, the finite every time-slot. The analysis of this approach is part odirfeit
horizon MWSS algorithm guarantees stability of the buffiers work.
the switch, in the sense that the system reaches an idle statRemark 2: The results in [24] are related to our approach.
infinitely often, w.p. 1. In that paper, the authors analyze the performance of a back-
Proof: We use the stability of the MWSS algorithm inpressure based policy for wired and wireless networks with

terms of degrees of freedom, to show that for each batéhtra-flow coding, and show that it stabilizes the system
the expected backlog clearance time can be made as smalfloasall rate vectors within the capacity region. The network
needed, compared to the size of the frafne constraints are captured in terms of capacities on each link

For any rate point that is strictly inside the rate region,which could be inter-dependent in the wireless setting. The
Je > 0,s.t. (1 + ¢)r is also inside the rate region. Chooserossbar switch, studied in our paper, is similar to the \efe
Ao = (1 + €)A. Consider a single MWSS frame. As far asetting in the sense that, an input may not send a different
the algorithm is concerned, the arrival process appeaes ligacket to different outputs simultaneously. Besides, ethera
the original arrival process, except that, the time-axisom- special kind of inter-dependence among the links in thallof
pressed by a factor 0@—0. As a result, the MWSS algorithm links going to the same output, at most one may be active at
sees an effective arrival rate %ﬂr. Since this effective rate a time. However, [24] gives an indirect characterizatiorthef
is inside the rate region, it follows from Theordih 4 that theate region in terms of certain flow variables, unlike the enor
backlogsz;;(t) are stable in the mean. explicit graph-theoretic characterization we have preudid

Now, the backlog clearance duratid is essentially the
sum of the backlogs in terms of degrees of freedom OVAI' Simulation of the Online Algorithm
all sub-flows at the end of the MWSS framiee., T (A) =

25,4 ¥i7i(A)- Thus, T is also stable in tgeT rr:eam;e., setting, through MATLAB simulations in & x 3 switch. The
limy o B[Tk(t)] < oo It follows that:lim, .o ZEUL — 0. geryn'we use is similar to the finite horizon MWSS algorithm,
ChooseA large enough such thab &) < . except, instead of the max weighted stable set which is known

To prove the stability of the buffers, we use the notions @b be N P-hard [25], we use a simpler randomized algorithm
idle state and busy state. The time for which the system is inuging the idea proposed in [23]. In each slot, we choose the
busy state, is called busy period We prove that the duration best of a constant number of randomly generated maximal
of a single contiguous busy period is finite with probability stable sets, and the stable set that was used in the previous
This implies that the system is stable in the sense that it willot. The values ofA ande were chosen to be 1000 slots and
become empty infinitely often with probability 1. 0.005 respectively.

Consider a single busy period. We denote the waiting timeWe compare the performance with the case of fanout split-
of the n'* batch in the busy period, byV,,. This is the ting without coding. For this case, we use a similar randechiz
difference between the time when the batch arrives completenodification of the algorithm given in [11] — instead of s&bl
at the switch and the time when the batch is flushed out afests, we work with the modified departure vectors defined in
service. In a busy period},, is always more tha\,. The that paper.
momentW,, falls below A, the busy period ends, since any The traffic pattern is chosen to be a combination of the
batch arrives only at the end @k, slots after the previous example pattern used in Sectibh 1l weighted by a factor of

one. Hence, we need to show thaf, will fall below Ao 2q, and a pattern with uniform unicasts, each having a rate

In this section, we study the effect of coding in an online

eventually. of 0.01«, wherea represents the load factor. Thus, the traffic
Now, pattern consists of one broadcast from input 1, with a rate of
n 4

s There are 3 unicasts, one to each output, from inputs 1,
Wn =nA + ZTi = (n=1)Ao. 3 and 4, each having a rate 6f0l«. From input 2, there
=l is a unicast of ratg2 + 0.01)c. The arrivals are generated
Thus, W,, < A iff Y| T; < neA. Since theT’s arei.i.d., according to an.i.d. Bernoulli process independently for each
it follows from the strong law of large numbers that for largéow.

n, W.p. J, Fig.[@ shows the plot of delay vs. load for the randomized
" algorithm with and without coding. At light loads, the algo-
ZTi = nE[T] + o(n). rithm due to coding is seen to have a larger delay. However,
=1

for the uncoded scheme, the delay shoots up at a lower value
(Here, a functionf(n) is said to beo(n), if lim, e f(n) _ of load, as opposed to the coded scheme. Thus, in terms of
0.) " throughput, the coded scheme is clearly better. Equiviglent
we can say that at high loads, network coding leads to benefits

Now, sinceE|[T;] < eA, Y, T; can be made smaller than
in terms of delay.

nel, for large enougm. This completes the proof.
[ |
Remark 1:The algorithm used in this proof can be im- VI. CONCLUSIONS
proved using an online streaming policy for buffer cleamnc This paper addresses the problem of serving multicast flows
in place of a frame based policy. For instance, packets in timean input-queued crossbar switch. We study the effect of
buffer can be replaced with innovative linear combinations allowing linear intra-flow network coding at the inputs. We
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Fig. 4. Delay vs. load plots with and without network coding

show that network coding leads to a larger rate region in
general, and demonstrate examples of traffic patterns wh&@
coding eliminates the need for speedup, to serve the traffic;{;

[11] M. A. Marsan, A. Bianco, P. Giaccone, E. Leonardi, andNeri,

a stable manner. We use a graph-theoretic formulation feeler

the rate region of the switch with network coding, and prap
offline and online algorithms to achieve this rate region.
also use the graph-theoretic formulation to understand the
effect of the structure of the traffic pattern on the throughp(1
and on the complexity of computing the schedule. Possilig,
future work could be to use this formulation to come up with

approximation schemes and heuristics that simplify thénenl [21]
scheduling algorithm and make it practical. [22

In summary, by allowing intra-flow linear network coding,

we get not only a gain in throughput, but also a more insightfu
characterization of the rate region, with potential to ussb-

theoretic results and algorithms.
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